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8.3.3 WirelessMAN-SC2 PHY Layer

The WirelessMAN-SC2 PHY uses single carrier technology to extend WirelessMAN operation to the 2-11
GHz frequency bands (per clause 1.2.4) and NLOS propagation conditions. Elements within this PHY
include:

» TDD and FDD support options.

*  TDMA uplink.

* Time Division Multiplexed (TDM) DL.

*  Block adaptive modulation and FEC coding for both UL and DL.

*  Framing elements that enable improved equalization and channel estimation performance over NLOS
and extended delay spread channels.

*  Symbol-unit granularity in packet sizes.

»  Concatenated FEC using Reed Solomon and Pragmatic TCM with optiona interleaving.

*  FEC option using Block Turbo Codes.

*  No-FEC option using ARQ for error control.

e Alamouti transmit diversity option.

*  Parameter settings and MAC/PHY messages that facilitate optional AAS implementations.

8.3.3.1 Transmit Processing

Figure 169 illustrates the steps involved in transmit processing. Source data shall first be randomized, and
then FEC encoded and mapped to QAM symbols. The QAM symbols shall next be framed within a message
burst, which typically introduces additional framing symbols. The burst symbols shall then multiplexed into
a duplex frame, which may contain multiple bursts. The | and Q symbols components shall be injected into
pulse shaping filters, quadrature modulated up to a carrier frequency, and amplified with power control so
that the proper output power is transmitted.

Except where exphieithy-otherwise indicated, transmit processing is the same for both the UL and DL.

carrier
scrambled QAM burst framed duplex framed transmit
bits symbols symbols symbols ¢ signal
source FEC and L] TX
bits _ [randomiza| |QAM con-[ | Burst [T| Duplex [ | Filtering | Quadrature| |Power
™ tion [™] stellation Framing Framing ™ Modul ation[®{Control| >
mapping [ 1 =
Q Q Q |_Filtering | Q

Figure 169—Transmit Processing
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8.3.3.1.1 Source Bit Randomization

Source hits, i.e., the original information bits prior to FEC encoding, shall be randomized during transmis-
sions.

preset / reset register contents
10 0 1 0 1 0 1 0 0 0 0O O OO
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Figure 170—Randomizer for Energy Dispersal

As Figure 170 illustrates, source bit randomization shall be performed by modulo-2 addition (XORing)
source (information) data with the output of Linear-Feedback Shift Register (LFSR) possessing characteris-
tic polynomial 1 + X + X1 The LFSR shall be preset at the beginning of each burst to the value
100101010000000, and shall be clocked once per processed bit.

Note that only source bits are randomized. This includes source payloads, plus unencoded null (zero) bits
that may be used to fill empty payload segments. Elements that are not a part of the source data, such as
framing elements, pilot symbols, and parity bits generated by the FEC, shall not be randomized. Null (zero)
bits used to complete a QAM symbol (when an alocation of does not fill an entire QAM symbol) shall aso
not be scrambled.

8.3.3.1.2 FEC

Broadcast messages shall use QPSK and the concatenated FEC of clause 8.3.3.1.2.1 with arate 1/2 convolu-
tional inner code. Adaptive modulation and the concatenated FEC of clause 8.3.3.1.2.1 shall be supported
for non-broadcast messages. The support of BTC (clause 8.3.3.1.2.3) as FEC as well as omitting the FEC
and relying solely on ARQ for error control (clause 8.3.3.1.2.2) is optional for non-broadcast messages.

8.3.3.1.2.1 Concatenated FEC
The concatenated FEC is based on the seria concatenation of a Reed-Solomon outer code and a rate-com-

patible TCM inner code. Byte interleaving between the outer and inner encoders is optional. Figure 171
illustrates the flow between blocks used by a concatenated FEC encoder.

Outer Encod Byte Inner Encoder
uter Encoder .
Rate-compatible
> —— —
RS(N,K,T) '”te;'ea‘;ler TCM fromK=7
(optional) rate 1/2 CC Code

Figure 171—Concatenated FEC encoder blocks



OCoO~NOUITAWNPE

2002-05-14 C802.16a-02/55

8.3.3.1.2.1.1 Outer Code
The outer code consists of a Reed Solomon code.

This Reed-Solomon code shall be derived from a systematic RS (N=255, K=239, T=8) code using GF(28).
The following polynomials are used for the systematic code:

2T-1

Code Generator Polynomial: 99 = (X+ A+ AN HAD) L (x+ AT N = 02,64

Field Generator Polynomial: p(x) = Caxtexd e+
The bit/byte conversion shall be msb first.

This RS code may be shortened and punctured to enable variable block sizes and variable error-correction
capability, where

» N number of overal bytes after encoding;
e K-number of data bytes before encoding;
e T- number of data byteswhich can be corrected.

When ablock is shortened to K' data bytes, the first 239-K' bytes of the encoder block shall be zero. When a
codeword is punctured to permit T' bytes to be corrected, only the first 2T' of the total 16 codeword bytes
shall be employed.

Support of shortening K of the base code to values smaller than 239 bytes while maintaining R=N-K = 16
is mandatory. The capability to also puncture, such that R< 16, isoptional, and is governed by the burst pro-
file specification for R.

When a source alocation does not divide into an integer number of K-byte Reed-Solomon code words, the
last (fractional) RS code word shall be shortened to a smaller K that accommodates the remainder bytes. All
code words, including the shortened last codeword, shall use the R specified by the burst profile for the RS
code words within that allocation.

8.3.3.1.2.1.2 [Optional] Block Interleaver

Support of interleaving between theinner and outer code is optional. Interleaving shall not be used in broad-
cast burst profiles. When interleaving is used, its usage and parameters shall be specified within a burst pro-
file

Theinterleaver changes the order of bytes from the Reed Solomon (RS) encoder output. A de-interleaver in
the receiver restores the order of the bytes prior to RS decoding. The interleaver is ablock interleaver, where
atableis ‘written', i.e, filled, a byte at a time row-wise (one row per RS code word) and 'read' a byte at a
time column-wise. The number of rows, Ng, used by the interleaver is a burst parameter. So that bursts are
not generated that exceed an intended receiver's capabilities, the largest Ng supported by a terminal is com-
municated during SS registration.

Operating parameters for an interleaver are summarized in Table 197.
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Table 197—Operating parameters for block interleaver

Par ameter Description
C Interleaver Width (number of columns), in bytes. Equivalent to the nominal Reed Solomon
codeword length, N.
Ngr Maximum Interleaver Depth (number of rows), in bytes. Equals the maximum number of RS
codewords that the block interleaver may store at any given time.
B Nominal Interleaver Block Size, in bytes. B = C Ng.
P RS-encoded Size of Packet, in bytes, to be interleaved.

When P <B and/or a RS codeword is shortened (so that not al of the columns within its row are filled), the
interleaver shall be read column by column (taking a byte from each column), skipping empty elements
within the table.

When P> B, data shall be parcelled into sub-blocks, and interleaving performed within each of the sub-
blocks. The depth of these sub-blocks shall be chosen such that all sub-blocks have approximately the same
depth (number of rows) using the following calculations:

Total RS codewordsin packet: T = ((_ﬂ

Number of sub-blocks: S = {EW

Interleaver depth of longest sub-blocks: C ., = EW
Number of blocks withdepth C,,: Qc = T-S(Cp,,—1)

Number of blockswithdepth C, = C ..—1: Q¢

max

=S-Qc -

min 'max

Thefirst Q.  sub-blocks within a packet shall use a (dynamic) interleaver depth C and the remainder

max . max’
of the sub-blocks shall use an interleaver depth C; . = C, ..~ 1.

8.3.3.1.2.1.3 Inner Code

The inner code is a rate-compatible pragmatic TCM code [B31], [B32] derived from a rate 1/2 constraint
length K=7, binary convolutional code.

The encoder for the rate 1/2 binary code shall use the following polynomials to generate its two code bit out-
puts, denoted X and Y:

Gy = Wt For X
G, = 1335c7 For Y

(1)

A binary encoder that implements this rate 1/2 code is depicted in Figure 172.
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X output

Datain

Y output

Figure 172—Binary rate 1/2 convolutional encoder

To generate binary code rates of 2/3, 3/4, 5/6, and 7/8, the rate 1/2 encoder outputs shall be punctured. The
puncturing patterns and serialization order for the X and Y outputs are defined in Table 198. In the puncture
patterns, a‘1’ denotes a transmitted output bit and a*0’ denotes a non-transmitted (punctured) bit.

Table 198—Puncture patterns and serialization for convolution code

Code Rates
Rate 12 2/3 3/4 5/6 7/8
Pun)étl?:tlg;tttem 1 10 101 10101 1000101
Punctre batern | 1 1 110 11010 1111010
Rggr?t; irze:ti)érT X1Y1 | X1Y1Ya | X1Y1YoXg | X1Y1YoXaYgXs | X1Y1Y2Y3Y 4XsYeXq

The pragmatic TCM code is constructed from both non-systematic coded bits (that are taken from the out-
puts of the rate 1/2 binary convolutional encoder) and systematic uncoded bits (that are taken directly from
the encoder input). The resulting coded bits are then mapped to symbol constellations. Supported modula-
tionsand code rates for UL and DL transmissions are listed in Table 199. The choice of a particular code rate
and modulation is made via burst profile parameters.

As indicated in Table 199, clauses 8.3.3.1.2.1.3.1 through 8.3.3.1.2.1.3.7 specify pragmatic TCM encoder
constructions. Clause 8.3.3.1.2.1.4 specifies the code bit to I-Q constellation maps associated with these
TCM encoders, and clause 8.3.3.1.2.1.3.8 specifies inner code block termination.

Since the RS outer code generates byte-denominated records but the inner code generates symbol-denomi-
nated outputs, some combinations of RS record sizes and inner code rates may require the inner code to
insert a fractional QAM symbol at the end of a data record. When such an event occurs, sufficient (unran-
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domized) zero-valued (null) bits shall be appended to the end of the inner encoder’s input record to complete
the final symbol. A receiver shall discard these null bits after inner decoding..

Table 199—Supported modulations and code rates

support ; L ocation of

Modulation | (M=Mandatory, 0=Optional) Code Rates Bits/symbol Encoder
UL DL Description(s)
BPSK (0] (0] 1/2, 3/4 1/2, 3/4 83312131
QPSK M M 1/2,2/3,3/4,5/6,7/8 | 1,4/3,3/2,5/3,7/4 | 83.3.1.2.1.3.1
16-QAM M M 1/2, 3/4 2,3 8.3.3.1.2.1.3.2,
8.3.3.1.2.1.33
64-QAM O M 2/3, 5/6 4,5 8.3.3.1.2.1.34,
8.3.3.1.2.1.35
256-QAM (0] (0] 3/4,7/8 6,7 8.3.3.1.2.1.3.6,
8.3.3.1.2.1.3.7

8.3.3.1.2.1.3.1 Encoding for BPSK and QPSK Modulations, All Rates

For BPSK, the binary outputs of the punctured binary encoder shall be directly sent to the BPSK symbol
mapper, using the multiplexed output sequence shown in the XY '-headed row of Table 198. For QPSK, the
multiplexed output sequence in Table 198 is alternately assigned to the | and Q coordinate QPSK mappers,
with the | coordinate receiving the first assignment. Figure 179 depicts the-bits-to-symbol-constellation
maps that shall be used for BPSK and QPSK.

8.3.3.1.2.1.3.2 Encoding for Rate % 16-QAM

Figure 173 illustrates the rate ¥ pragmatic TCM encoder for 16-QAM. The baseline rate ¥z binary convolu-
tional encoder first generates a two-bit constellation index, bab,, associated with the | symbol coordinate.
Provided the next encoder input, it generates a two bit constellation index, b;bg, for the Q symbol coordi-
nate. The | index generation shall precede the Q index generation. Note that this encoder should be inter-
preted as arate 2/4 encoder, because it generates one four bit code symbol per two input bits. For this reason,
input records of lengths divisible by two shall be fed to this encoder.

Figure 179-ef-elause-8-3-2-5 depicts the bits-to-constellation map that shall be is-applied to the rate 1/2 16-
QAM encoder output. Thisisa Gray code map.

X=C Bit to S\/mbgl
u =1 mapping: 1
O_» tra?wt(?o%i/ezr ’@bit pair mapped|___ . |+ Or Q output sequence:
v=c b, or by ftol, 2™ bit pair I Qi ket Qi
-0 mapped to Q

Figure 173—Pragmatic TCM encoder for rate %2 16-QAM



OCoO~NOUITAWNPE

2002-05-14 C802.16a-02/55

8.3.3.1.2.1.3.3 Encoding for Rate 3/416-QAM

Figure 174 illustrates the rate 3/4 pragmatic TCM encoder for 16-QAM. This encoder uses the baseline rate
% binary convolutiona encoder, along with two systematic bits that are passed directly from the encoder
input to the encoder output. With this structure, the encoder is capable of simultaneously generating 4 output
bits per three input bits. The sequence of arrival for the u,uug input into the encoder is u, arrives first, uy
second, ug last. During the encoding process, the encoder generates a two bit constellation index, bsb,, for
the | symbol coordinate, and simultaneously generates another two bit constellation index, designated b, bg,
for the Q symbol coordinate. Note that whole symbols must be transmitted, so input records of lengths divis-
ible by three shall be fed to this encoder.

rate 3/4 16-QAM encoder output. Thisis pragmatic TCM map.

Uz

u
e m

u; cy mapping > '

N Y
X=c1 FEREEIN u
>l - \4&1 b ;
Yo rate 1/2 4 Bit Q
— mapping >
encoder ol o Co ’E ?g% g
Y:CO

Figure 174—Pragmatic TCM encoder for rate 3/4 16-QAM

8.3.3.1.2.1.3.4 Encoding for Rate 2/3 64-QAM

Figure 175 illustrates the rate 2/3 pragmatic TCM encoder for 64-QAM. This encoder uses the baseline rate
% binary convolutional encoder, along with one systematic bit that is passed directly from the encoder input
to the encoder output. The sequence of arrival for the ujug input into the encoder is uy arrivesfirst, ug last.
The encoder (as awhole) then generates a three bit constellation index, bsbsbs, which is associated with the
| symbol coordinate. Provided another two-bit encoder input, the encoder generates another three bit con-
stellation index, bobybg, which is associated with the Q symbol coordinate. The | index generation should
precede the Q index generation. Note that this encoder should be interpreted as a rate 4/6 encoder, because it
generates one six bit code symbol per four input bits. For this reason, input records of lengths divisible by
four shall be fed to this encoder.

rate 2/3 64-QAM encoder output. Thisisapragmatic TCM map.

ug

[ Bitto symbol
» b5 or by mapping:

X=¢; 1% 3-tuple I, or Q output sequence:
byorb —»
Uo rate 1/2 4= 1 magpedtol, I Qo w1 Qi
—» encoder 2N 3-tuple

Tco’@ mapped to Q

Figure 175—Pragmatic TCM encoder for rate 2/3 64-QAM

8.3.3.1.2.1.3.5 Encoding for Rate 5/6 64-QAM

Figure 176 illustrates the rate 5/6 pragmatic TCM encoder for 64-QAM. This encoder uses a rate ¥ punc-
tured version of the rate baseline rate %2 binary convolutional encoder, along with two systematic bitsthat are
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passed directly from the encoder input to the encoder output. The rate ¥ punctured code is generated from
the baseline rate 1/2 code using the rate 3/4 puncture mask definition in Table 190 of clause 8.3.2.4.1.2.
Puncture samples are sequenced c; first, ¢, second, ¢, third, and cq last. The sequence of arrival for the
UsU3U,Uq Ug input into the encoder is uy arrivesfirst, ug arrives second, u, arrivesthird, u, arrives next to last,
and ug arrives last. During the encoding process, the pragmatic encoder generates a three bit constellation
index, bsbybs, for the | symbol coordinate, and simultaneously generates another three bit constellation
index, b,bybg, for the Q symbol coordinate. Note that whole symbols must be transmitted, so input records
of lengths divisible by five shall be fed to this encoder.

rate 5/6 64-QAM encoder output. Thisisapragmatic TCM map.

Uy Uy

Uz o > C3 %5 Bt >
- ] % » D4 | mapping !
J c N » b tol
2yl rate3/d S P ° °
Uy encoder | C2 s »lh, Bit
; o = :
= (derived | & _| > 1 b, mapping > Q
Uo frompunc.| c¢g N
> rate 112) L = e

Figure 176—Pragmatic TCM encoder for rate 5/6 64-QAM
8.3.3.1.2.1.3.6 Encoding for Rate 3/4 256-QAM

Figure 177 illustrates the rate 3/4 pragmatic TCM encoder for 256-QAM. This encoder uses the baseline rate
% binary convolutiona encoder, along with two systematic bits that are passed directly from the encoder
input to the encoder output. The sequence of arrival for the u,uyug input into the encoder is u, arrives first,
Uq next, ug last. Note that the encoder (as a whole) first generates a four bit constellation index, b;bgbsby,
which isassociated with the | symbol coordinate. Provided another four bit encoder input, it generates afour
bit constellation index, bsb,b; by, which is associated with the Q symbol coordinate. The | index generation
should precede the Q index generation. Note that this encoder should be interpreted as a rate 6/8 encoder,
because it generates one eight bit code symbol per six input bits. For this reason, input records of lengths
divisible by six shall be fed to this encoder.

rate 3/4 256-QAM encoder output. Thisisapragmatic TCM map.

uz
> I b7 or b3 Bit to symbol
Uz rgaopmg:
X T @ . 43?"3' I, or Q output sequence:
=C mapp ol, —» " 3
UO rate 1/2 1 > - P b5 or bl 2nd 4-tup|e Ik, Qk, |k+1, Qk+1,...
encoder e R [, or by mapped to Q
=Co

Figure 177—Optional pragmatic TCM encoder for rate % 256-QAM

8.3.3.1.2.1.3.7 Encoding for Rate 7/8 256-QAM

Figure 178 illustrates the rate 7/8 pragmatic TCM encoder for 256-QAM. This encoder uses a rate ¥ punc-
tured version of the rate baseline rate %z binary convolutional encoder, along with two systematic bitsthat are
passed directly from the encoder input to the encoder output. The rate ¥ punctured code is generated from
the baseline rate 1/2 code using the rate 3/4 puncture mask definition in Table 190 of clause 8.3.2.4.1.2.
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Puncture samples are sequenced c; first, ¢, second, ¢, third, and cq last. The sequence of arrival for the
UgUsU4U3UoU4 Ug input into the encoder (as a whole) is ug arrives first, ug arrives second, u, arrives third, ug
arrives fourth, u, arrives fifth, u; arrives next to last, and ug arrives last. During the encoding process, the
encoder generates a four bit constellation index, b;bghgb,, for the I symbol coordinate, and simultaneously
generates another four bit constellation index, bsb,b;bg, for the Q symbol coordinate. Note that whole 256-
QAM symbols should be transmitted, so input records of lengths divisible by seven shall be fed to this
encoder.

rate 7/8 256-QAM encoder output. Thisisapragmatic TCM map.

Ug Ug
e » »| b; Bi
Ug Ug .. it
P - - - - - » > be m i
u |9 | mapping
4 »> %5, bs| tol (——!
us . C2 ]
[ [ b
> o » b,
u ST
2 rate:3/4 ‘(’:3 >l - 34 >3] g
encoder 2 3 I . Q
u - > » b —
1> (derived | & | | Co 2 meRing
Ug frompunc.[ ¢g e by Q
— | rate 1/2) oo > > B

Figure 178—Optional pragmatic TCM encoder for rate 7/8 256-QAM

8.3.3.1.2.1.3.8 Inner Code Termination

Inner code blocks are to be zero-state terminated in transitions between adaptive modulation (and FEC)
types, at the ends of bursts, or as instructed by the MAC and frame control.

When using zero state termination, the baseline rate %2 convolutional encoder shall be initialized with its reg-
isters in the all-zeros state. Inner encoding shall begin from this state, by accepting bit inputs. To terminate
the inner code (and return the encoder to the all-zeros state) at the end of a code block, at least 6 zero inputs
shal be fed into the baseline rate ¥z binary convolutional encoder so that its register memory is flushed, i.e,
its state memory is driven to zero. Once the first flushing zero bit is introduced into the convolutional
encoder memory, all input bits, including the systematic input bits that are parallel to the binary convolu-
tional encoder inputs, shall have zero value.

Table 200 specifies the exact number of systematic and non-systematic bits that shall be used to flush a prag-
matic TCM encoder. It also tabulates the number of symbols consumed in the code termination process.

10
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Table 200—Flushing bit requirements for inner code termination
Vodulation %g?g Number of Flushing Bits Cong%megeéy?;bds

Non-systematic Systematic Total

BPSK 12 6 0 6 12
34 6 0 6 8

QPSK 12 6 0 6 6
2/3 7 0 7 5

3/4 6 0 6 4

5/6 6 0 6 4

7/18 7 0 7 4

16-QAM 12 6 0 6 3
34 6 12 18 6

64-QAM 2/3 6 6 12 3
5/6 6 4 10 2

256-QAM 34 6 12 18 3
7/18 6 8 14 2

8.3.3.1.2.1.4 Constellation Mapping

For the concatenated FEC, code bits shall be mapped to | and Q symbol coordinates using either a pragmatic
TCM or Gray code symbol map, depending on the code rate and modulation scheme. All BPSK and QPSK
code rates and rate 1/2 16-QAM shall use the Gray coded constellation maps depicted in Figure 179. Rate 3/
4 16-QAM and all code rates for 64-QAM shall use the pragmatic TCM constellation map depicted in Fig-
ure 180. All code ratesfor 256-QAM shall use the pragmatic TCM constell ation map depicted in Figure 181.

bib Q
140 A
01 o e 3+ o .
00 ° e 1+ e °
T
10 e -1 e .
11 e ¢ .3+ e .
\J
11 10 00 01 bgb,

Figure 179—Gray maps for BPSK, QPSK and 16-QAM constellations

11
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Figure 180—Pragmatic maps for 16-QAM and 64-QAM constellations
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1 1 O 0 1 1 0 0 1 1 0 0 1 1 0 0 bg
1 0 O 1 1 0O O 1 1 0 O 1 1 0 O 1 by
Figure 181—Pragmatic map for 256-QAM constellation

To obtain unity average power of transmitted sequences, | and Q coordinates of constellation points are mul-
tiplied by the appropriate factor for c listed in Table 201.

Table 201—Unity average power normalization factors

Modulation Normalization
scheme Constant for Unity
Aver age Power
QPSK =1/.2
16 QAM = 1/.,/10
64 QAM = 1/./42
256 QAM = 1/.4/170
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8.3.3.1.2.2 No FEC

In the No FEC option, scrambled source data shall be mapped directly to a QAM symbol constellation, using
the appropriate Gray coding map. These maps are found in Figure 179 (for BPSK, QPSK, 16-QAM), Figure
182 (for 64-QAM), and Figure 183 (for 256-QAM). Support of no-FEC operation for QPSK is mandatory,
but is optional for al other QAM. This no-FEC mode is particularly useful for radio receiver performance
testing.

In the event that the source record size in bytes does not divide into an integral number of QAM symbols,
sufficient unscrambled zero-valued (null) bits shall be appended to the end of the data record to complete the
last symbol. These null bits shall be discarded at the receiver.

b, bg f
011 « o o o« 7+ o . o o
010 e . . e 5+ o . . .
000 = . . e 3+ e . . .
001 » . . e 1+ e . . .
- ; ; : : ; : |
- 5 -3 1|1 3 5 7
101 . . e -1 e . . .
100 e ° ° -3+ e ° ° °
110 = ° (] o5+~ o . . .
111 e ° . o-71 e . . .

111 110 100 101 Y 001 000 010 011 bgbsbs
Figure 182—Gray map for 64-QAM constellation
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0101 - hd . ] . . ] e 91 o . ) . . . . .
0001 . . . . . . e 71+ o . . 0 . . . .
OOOO ) 3 . . 3 . . o5+ o . . e ° . M .
0010 . . . . . . «31 o . . . . . . .
0011 - . . . . . . o1l o . . . . . ° .
5 4T 9 & 8 @ 4 T 85 5 7 vt 13 1
1011 . . . . . . . o-11 o . . . . . . .
1010 . . . . . . -3 o . . . . . . .
1000 - - . 0 - . . 51 o . 0 . . . . .
1001 . . . . . . -7+ o . . . . . . .
1101 . . . . . . 9 . . . . . . . .
1100 0 . . . . . . .-11— . . . 0 . . . .
1110 . . . . . . 0'133— . . . . . . . .
1111 0 . . . . . . ;15—— . . . 0 . . . .
1 1 1 1 1 1 1 1Yo 0 0 O O O O Ob
1 1 1 1 0 o 0 o O O o0 o 1 1 1 1 bg
1 1 0 0O O 0 1 1 1 1 0 O 0 o0 1 1 bg
1 0 O 1 1 0O O 1 1 0 0 1 1 0 O 1 by
Figure 183—Gray map for 256-QAM constellation

8.3.3.1.2.3 Block Turbo Code

Support of the Block Turbo Code FEC is optional.

A BTC isformed from the product of two component codes, each of which is a binary extended Hamming
code or single parity check code, and taken from the set of codes listed in Table 202. Table 203 specifies the
generator polynomials for the Hamming codes; to form an extended Hamming code from the base Hamming

code, an overall even parity check bit is added at the end of each Hamming code word.
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Table 202—BTC component codes

Component code (n,k) Codetype
(64,57) Extended Hamming Code
(32,26) Extended Hamming Code
(16,11) Extended Hamming Code
(8,4) Extended Hamming Code
(64,63) Parity Check Code
(32,31) Parity Check Code
(16,15) Parity Check Code
(8,7) Parity Check Code
4,3) Parity Check Code

Table 203—Hamming code generator polynomials

n’ k’ Generator polynomial
7 4 X3+x1+1
15 1 X44+x1+1
31 26 X5+x2+1
63 57 XOex+1

A BTC is encoded by writing data row by row into the two dimensional matrix form illustrated in Figure
184. The k, information bits in each row are encoded into n, bits by using the component block (n,, k,) code
specified for the respective ‘row’ component code. After encoding the rows, the columns are encoded using
ablock (ny, ky) code, where the check bits of the row codes are also encoded. Data bit ordering for the com-
posite BTC matrix is: the left-most bit in the first row isthelsb, the next bit in the first row isthe next-to-Isb,
and the last data bit in the last data row is the msh.

An encoded BTC block shall be read out of matrix (for transmission) as a seria bit stream, starting with the
Isb and ending with the msb. This bit stream shall sent to a symbol mapper which uses a Gray maps depicted
in Figure 179 for BPSK and QPSK, and the pragmatic maps depicted in Figure 180 and Figure 181 for 16-
QAM, 64-QAM and 256-QAM.

The overal block size of a product codeis n = n, x n, , thetotal number of information bits k = k, x k, and
the code rate is R = R, xR, where R, = ki/n;, i=X, y. To match an arbitrary required packet size, BTCs
may be shortened by removing symbols from the BTC array. Rows, columns or parts thereof can be
removed until the appropriate size is reached. Three steps are involved in the shortening of product codes:
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Step 1: Remove I, rows and Iy, columns from the 2-dimensional code. This is equivalent to shorten-

ing the constituent codes that make up the product code.

Step 2: Remove B individual bits from the first row of the 2-dimensional code starting with the Isb.

Step 3: Useif the product code specified from steps 1 and 2 has a non-integral number of data bytes.
In this case, the Q left over Isb bits are zero filled by the encoder. After decoding at the receive
end, the decoder shall strip off these unused bits and only the specified data payload is passed
to the next higher level in the physical layer. The same general method is used for shortening
the last code word in a message where the available data bytes do not fill the available data

bytes in a code block.

These three processes of code shortening areillustrated in Figure 184. The left-hand side of the figure illus-
trates a non-shortened BTC, whereas the right-hand side illustrates a shortened BTC. The new coded block
length of the code is (n,-1,)(ny-1y)-B. The corresponding information length is given as (ky-l,)(ky-1y)-B-Q.

Consequently, the code rate is given by:

(k=1 )(k,—1,)-B-Q
~ (ne=1)(ny—1,)-B

2

r]X r]X
A A ¢Iy
Kk,
—<—>
K =5 y
ny Checks ny . Checks
Information Bits ! Information Bits
Checkg ' Checkg
Checks on : Checks on
Yy Checks | Checks
-
- » X
Ky < Kk >

Figure 184—BTC and shortened BTC structures

8.3.3.1.3 Burst Framing

Both DL and UL data shall be formatted into bursts that use the Framed Burst format. The DL shall support

the most genera case of TDM bursts, while the UL shall support TDMA bursts.

TDMA burst and continuous DL operational modes are subclasses of the TDM burst DL mode of operation,
and should be realizable using equipment designed for general TDM operation. The coordination of UL and

DL bursts used to implement a TDD or FDD system is specified in 8.3.3.1.4.
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8.3.3.1.3.1 Fundamental Burst Framing Elements

H
<>
< <>
Burst Preamble Payload (and optional Pilot Words) RxDS
< - __ Interval for Ramp
Down and delay spread

RU| UW | ... | UW ’ﬂ to clear receiver

~ .

*. Ramp Up Ramp Down

Figure 185—Fundamental burst framing elements

As Figure 185 illustrates, a burst consists of three fundamental framing elements: a Burst Preamble that
includes ramp-updewn; a Payload; and an RxDS interval that includes ramp-down.

8.3.3.1.3.1.1 Burst Preamble

A Burst Preamble shall consist of a ramp up region followed by a preamble body. Burst profile parameters
shall specify R, the length of the ramp up region in symbols, and m, the number of Unique Words compos-
ing the preamble body. The burst profile shall aso specify U, the number of symbolsin a Unique Word.
8.3.3.1.3.1.1.1 Unigue Word Content in the Burst Preamble

A Burst Preamble shall be constructed from the last R symbols of a Unique Word followed by an integer

multiple m=0 of Unique Words, each Unique Word being U symbols in length. Figure 186 illustrates this
requirement.

H=R+mU symbols (m=0)

A
\

Burst Preamble

Preamble body: mU symbols

RampUp | UW uw
=R U & U =
symbols
of UW

Figure 186—Burst preamble composition

8.3.3.1.3.1.1.2 Ramp Up

For . = 0, aramp up element within the Burst Preamble shall not be created.

For >0, aramp up element shall be created. When creating a ramp up € ement, the transmit filter memory
shal beinitiaized with zero-valued (null) symbols. R, ramp up symbols shall then be sequentially fed into

the transmit filter input stream. The transient preceding the first ramp up symbol shall be suppressed at the
transmit filter output until the symbol period of the first ramp up symbol. A ramped power buildup shall then
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be achieved by superimposing a multiplicative raised cosine half-window of duration R, symbols upon the
samples leaving the transmit filter.

8.3.3.1.3.1.2 Burst Payload

The Burst Payload block depicted in Figure 185 contains payload data. The Burst Payload block may also
contain periodically inserted Pilot Words, if the burst profile specifies their inclusion. The capability to
demodulate payloads of arbitrary length and symbol-unit granularity is mandatory. The capability to insert
Pilot Words at the transmitter and remove them at the receiver is aso mandatory.

8.3.3.1.3.1.2.1 MAC Frame Control and Adaptive Modulation Sequencing

A DL burst may contain time division multiplexed messages that are adaptively modulated for the intended
message recipients. When a MAC frame control message is to be transmitted within a DL burst, it shall
always appear first, and shall use QPSK. Subsequent messages within the burst shall be sequenced in
decreasing order of modulation robustness, beginning with the most robust modulation that is supported at
the transmitter. The capability to transition between modulation types on any symbol boundary within a
burst shall be supported. FEC blocks shall be terminated at every such transition.

One exception to the modulation sequencing rule is null payload fill, which shall always appear as the final
message in a burst, and shall be transmitted using QPSK.

An UL burst contains a single message, and uses a single modulation format within a burst. However, differ-
ent bursts may have different modulation formats. Additional description of MAC / PHY support for adap-
tive modulation and coding is provided in clause 6.2.7.

8.3.3.1.3.1.3 Null Payload Fill

When additional payload datais necessary to fill the end of a burst frame, e.g., when a continuous DL does
not have enough data fill aMAC frame, null payload fill may be inserted. The capability to insert null pay-
load fill at atransmitter and discard it at areceiver is mandatory.

Null payload fill shall use the null fill datatype. A MAC Frame control (MAP) message treats the null fill
data type as an adaptive modulation type, and therefore shall indicate when and for how long this data type
shall be transmitted within a burst. Null payload fill data shall aso be subject to pilot word patterning within
aburst.

The null fill data type is defined as zero-valued source bits that are randomized (clause 8.3.3.1.1) and
mapped directly to QPSK symbols using the Gray code map in Figure 179. The randomizer shall run (with-
out reset) through both the preceding burst payload and the null payload fill, but null payload fill shall not
covered (in the MAC) by a CRC code. During null payload fill transmission, a transmitter’s output power
may be reduced.

8.3.3.1.3.1.4 Pilot Words

A Pilot Word is a contiguous sequence of symbols composed of an integer n>0 multiple of Unique Words,
which may periodically pattern aburst. As Figure 187 illustrates, the period of a Pilot Word, F (in symbols),
is defined to include the length, P, of the Pilot Word. Both F and n are parameters specified within a burst
profile. The setting n = 0 indicates that no Pilot words shall be patterned within a burst.

When Pilot Words are patterned within a burst, F for that burst shall be constant, and the first symbol of the

first Pilot Word shall commence F-P+ 1 symbolsinto the burst. As Figure 187 illustrates, Pilot Word pattern-
ing shall cease when F-P or |less payload data symbolsremain in the burst.
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Burst Preamble Payload (and Pilot Words) RxDS

Payload data | Pilot | payload data | Pilot | Payload data
Word Word

-
5> -p>

A

-l
L g )

F symbols F symbols
Figure 187—Pilot Word patterning within a burst

8.3.3.1.3.1.5 Receiver Delay Spread Clearing Region (RxDS)

The receiver delay spread clearing interval (RxDS) illustrated in Figure 185 is a quiet period during which
the transmitter ramps down, and the receiver collects delay-spread versions of symbols at the end of the
burst. The capability to insert thetis RxDS region at the transmitter is mandatory. The length of the RxDS
region shall aways the length of a Unique Word, unless it is suppressed (i.e., set to length zero). One
instance where the RxDS is automatically suppressed is when bursts are concatenated.

8.3.3.1.3.1.5.1 Ramp Down

If the RxDS region-is nonzero in length, atransmitter shall ramp down during this RXDS regier-by inserting
zero inputs into the transmit filter memory following the last intended data symbol, and alowing the natural
response of the filter to drive the filter output to zero.

8.3.3.1.3.2 Unique Word

8.3.3.1.3.2.1 Selection

The length, U, in symbols of a Unique Word (UW) is a burst profile parameter. For best performance, U
should be at least aslong as the intended channel’s span of significant delay spread.

8.3.3.1.3.2.2 Definition

Unique Words are derived from Frank-Zadoff [B22] or Chu [B23] sequences, and possess CAZAC (Con-
stant Amplitude Zero [periodic] Auto-Correlation) properties. A burst profile specifies a Unique Word from
the options listed in Table 204. The sequence length U = 64 shall be supported and considered a default set-
ting. U = 16 shall also be supported for symbol rates below 1.25 Msymb/s, and U = 256 shall also be sup-
ported for symbol rates above 20 Msymb/s. The other optional sequence lengths listed in Table 204 may be
useful for longer or shorter delay spread channels.
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Table 204—UW lengths, types, and support

Length, U Sequence Type Support
(symbols) Status
0 Optional
8 Chu Optional
16 Frank-Zadoff Optional

(Mandatory
below 1.25
Msymb/s)
32 Chu Optional
64 Frank-Zadoff Mandatory
(default)
128 Chu Optional
256 Frank-Zadoff Optional
(Mandatory
above 20
Msymb/s)
512 Chu Optional

The integer n-indexed | and Q components of alength U, 0<n< U, Unique Word sequence shall be gener-
ated from

I[n] = cos(B[n])

3
Q[n] = sin(®[n]) ®

where 6[n] = 6,,,[n] when generating a Chu sequence, and 6[n] = 6, [n] when generating a Frank-
Zadoff sequence. For a Chu sequence,

2
Oenulrl = T (@)

and-for a Frank-Zadoff sequence,

2
efrank[n: p"'Q«/U] = T“;—Gm

5
0,1,..,Ju-1 ®)
0,1,..,J/u-1

Thelength U = 16, 64, and 256 Unique Word sequences are composed of symbols from QPSK, 8-PSK, and
16-PSK alphabets, respectively. However, the length U = 8, 32, 128, and 512 sequences are derived from
polyphase symbol a phabets that may require additional care in a hardware implementation. The error vector
magnitude (EVM) for Unique Word symbols in a transmitter implementation should conform with the gen-
eral requirements stated in clause 8.3.3.4.1.5.

21



OCoO~NOUITAWNPE

2002-05-14 C802.16a-02/55

8.3.3.1.4 Duplex Framing

Clause 8.3.3.1.4.1 specifies FDD operation, while clause 8.3.3.1.4.2 specifies TDD operation. Support of at
least one of these two duplexing modes is mandatory.

8.3.3.1.4.1 FDD

Frequency Division Duplexing (FDD) segregates the UL and DL on different-frequency carriers: BSs trans-
mit at the DL carrier frequency, while SSs transmit at the UL carrier frequency.

A SSin aFDD system shall be capable of operation over aburst DL and UL. Moreover, given appropriate
parameterization of aburst DL, a SS shall aso be capable of continuous DL operation.

8.3.3.1.4.1.1 FDD with Burst DL

An example FDD system with burst-TDM DL isillustrated in Figure 188. As Figure 188 illustrates, DL and
UL sub-frames shall coincide in length, and shall repeat at regular (MAC-defined) constant intervals.

8.3.3.1.4.1.1.1 DL

A DL burst shall not exceed the length of a DL sub-frame, but it need not fill the entire DL frame. Also,
although not illustrated in Figure 188, the capability to support several DL bursts within a DL sub-frame is
mandatory.

The first burst in each DL sub-frame shall commence with a Burst Preamble (BP), and shall be directly fol-
lowed by a Frame Control Header (FCH), which is a broadcast message which governs the operation of DL
and UL frames. Only thefirst burst in a DL sub-frame shall be required to possess the FCH.

A FCH shal use the Concatenated FEC with rate 1/2 inner code and QPSK, and shall not use byte-interleav-
ing. Thefirst Xgcy symbols of the FCH shall contain MAC datathat can be used to determine the allocation
extent of data containing the next DL frame's entire FCH. These Xgc symbols shall be encapsulated within
a 8-byte correcting RS codeword and a convolutional code that terminates at the Xgcy symbol point. Xgcy
aneHi s a software system configuration parameter that is downloaded from the SSMAC during SSinitializa-
tion. Neither It shall not change within a system installation, unless a software update is provided to all cur-
rent and future users of the system.
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User | Slot INUM.| v odulation Code other]
ID | ID |Slots

| 7E | 1 | 1 | QPSK |Concat.rl/2inner| |
3B 2 1 16-QAM BTCr 3/4

Header| PHY | DL UL
Ox7F | Sync | MAP | MAP

FCH FCH | DL DL DL
BP QPSK DL payload(s) RxDS BP QPSK|PL1|PL2| ™" |PMm RxDS
~ DL MAC frame (n) > DL MAC frame (n+1) >
B UL MAC frame (n-1) L UL MAC frame (n) -
UL UL UL
Requests UL payload(s) Requests PL1| PL2 Y PM |
Network reg. BW request TDMA
contention slots | contention sots burst

TDMA TDMA
burst |*""| burst

GS TDMA GS

burst
BP burst payload RxDS
Ramp | yw . Uw Ramp
Up Down

Figure 188—Example of FDD with burst TDM DL

The portion of the FCH following the first Xgcy symbols may be aggregated with data from an adjacent
payload message if the payload data shares the same burst profile asthe FCH. Asthe breakout illustration in
the middle of Figure 188 illustrates, the FCH is composed of several fields. These include a fixed Header
sequence; a PHY Sync that serves as a global time stamp to synchronize network time between the UL and
DL duplexes, a DL MAP that contains the sizes and burst profile indices of the next MAC frame's multi-
plexed DL messages (including the next frame’s FCH); and a UL MAP that contains the sizes and burst pro-
files of UL grants and request slots at some time in the future. Note that the first Xy Symbols contain data
up through the length of the first burst profilein the DL MAP.

Time division multiplexed DL payload data may follow the FCH. A DL burst concludes with an RxDS to
allow delay spread to clear the receiver. In the event that aDL MAC frameisentirely filled with data, bursts
may be concatenated and the RxDS suppressed. In other words, an RxDS of zero length shall be used, so
that no ramp down occurs, and the Preamble of the next MAC frame may immediately commence. The pre-
amble of that next MAC frame shall then use aramp up parameter R, R of zero, so that no ramp up occurs.
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When more than one bursts are is to be transmitted within asingle DL MAC sub-frame, the DL-MAP of the
first payload in the follow-up burst shall have a burst profile with its DL Burst Transition Gap (DL-BTG)
entry enabled. The DL-BTG is a burst profile parameter. When enabled, the DL-BTG aso indicates the
length of the gap between bursts. The DL-BTG includes the RxDS terminating such a burst, and thus, when
enabled, shall be specified to be at least as long as the RxDS.

8.3.3.1.4.1.1.2 UL
An UL sub-frame contains three categories of bursts:

* Network Registration Contention Slotsthat are transmitted in contention slots reserved for station regis-
tration;

*  BW Request Contention Slots that are transmitted in contention slots reserved for response to multicast
and broadcast polls for bandwidth needs;

» Grantsof BW that are specifically allocated to individual SSs.

As Figure 188 illustrates, UL bursts are TDMA, and shall be constructed from a Burst Preamble (BP),
including ramp up; a Burst Payload; and a receiver delay spread clear interval (RXDS)—+egion, including
ramp down. SS Transition Gaps (SSTGs) separate the burst transmissions of the various SSs using the UL.
A SSTG specification includes the length of the RxDS, along with any additional guard symbolsthat may be
inserted between UL bursts to reflect reference time uncertainties.

As shown in the UL sub-frame of Figure 188, the Network Registration and BW Request Contention Slots
shall always be grouped contiguously as Request Slots. To insure interoperability, these request slots shall
use UL burst profiles that all BSs and SSs can support. All UL bursts excluding network registration slots
shall use a SSTG (between bursts) that is specified as a UCD channel descriptor parameter. Since larger time
uncertainties may be experienced on the network registration slots, a special Network Registration SSTG
channel descriptor parameter shall be associated with the network registration slots. The Network Registra-
tion SSTG specification includes both the length of the RxDS and additional guard symbols. The additional
guard symbols used by the Network Registration SSTG are designated by ‘GS'’ in Figure 188.

The UL-MAP in the DL FCH governs the location, burst size, and burst profiles for exclusive BW grantsto
SSs. Burst profile selection may be based on the effects of distance, interference and environmenta factors
on transmission from the SS.

8.3.3.1.4.1.2 Generating a Continuous DL from a Burst DL

A continuous DL may be derived from a burst DL by null payload filling the end of a burst, to insure that it
spans an entire DL frame. By so doing, a burst DL is forced to suppress both the RxDS and ramp up burst
elements, because burst DL s are mandated suppress these elements when aDL MAC frameisfull. To insert
null payload fill, the last entry in the DL MAP of an FCH shall specify the burst profile for the null fill data
type. Clause 8.3.3.1.3.1.3 contains details on the null payload fill datatype.

8.3.3.1.4.1.3 FDD Channel Descriptor Field Definitions

This clause identifies channel descriptor formats for a system using a FDD downlink.

8.3.3.1.4.1.3.1 DL Channel Descriptor Parameters

Each Downlink Channel Descriptor (DCD) message channel descriptor shal include the following TLV
encodings:

Downlink_Burst_Profile
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BSEIRP
Frame Duration Code
DCD Channel ID

8.3.3.1.4.1.3.2 DL Burst Descriptor Parameters

Each DCD message burst descriptor shall include the following TLV encodings:

Modulation Type

Reed Solomon Information Bytes (K)
Reed Solomon Parity Bytes (R)
BTC Row Code Type

BTC Column Code Type

BTC Interleaving Type

DIUC Mandatory Exit Threshold
DIUC Minimum Entry Threshold
Preamble Length

CC-gspecific Parameters

Unigque Word Length

Pilot Word Parameters

Transmit Diversity Type

Block Interleaver Depth

DL Burst Transition Gap
Alamouti Parameters

8.3.3.1.4.1.3.3 UL Channel Descriptor Parameters

C802.16a-02/55

Each Uplink Channel Descriptor (UCD) message channel descriptor shall include the following TLV encod-

ings:

Uplink_Burst_Profile

Symbol Rate

Frequency

SS Transition Gap

Roll-Off Factor

Contention-Based Reservation Timeout
Channel Width

Network Registration SSTG

8.3.3.1.4.1.3.4 UL Burst Descriptor Parameters

Each UCD message burst descriptor shall include the following TLV encodings:

Modulation Type
Preamble Length

RS Information Bytes (K)
RS Parity Bytes (R)

BTC Row Code Type
BTC Column Code Type
BTC Interleaving Type
Block Interleaver Depth
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CC-specific Parameters
Preamble Parameters
Unigue Word Length
Pilot Word Parameters
Transmit Diversity Type
Alamouti Parameters

8.3.3.1.4.2TDD

TDD multiplexes the UL and DL on the same carrier, over different time intervals within the same MAC
frame.

Figure 189 illustrates TDD operation with a single-burst TDM downlink. In TDD, the DL and UL alternate
between occupying a shared MAC frame, with the DL sub-frame preceding the uplink sub-frame. The size
of shared MAC frame shall be constant; however, the DL and UL sub-frame sizes within the shared MAC
frame shall vary according to all ocations directed by the UL-MAP and DL-MAP. Although Figure 189 illus-
trates asingle TDM burst per DL sub-frame, the capability to accommodate several TDM bursts is manda-
tory, with the first burst in the DL duplex sub-frame containing the Frame Control Header.

When more than one bursts are to be transmitted within a single DL MAC sub-frame, the DL-MAP of the
first payload in the follow-up burst shall have a burst profile with its DL Burst Transition Gap (DL-BTG)
entry enabled. The DL-BTG is a burst profile parameter. When enabled, the DL-BTG aso indicates the
length of the gap between bursts. The DL-BTG includes the RxDS terminating such a burst, and thus, when
enabled, shall be specified to be at least as long as the RxDS.

Most framing elements within TDD are found in FDD and perform the same functions; therefore, for
descriptions of these elements, consult clause 8.3.3.1.4.1.1. The only frame element in TDD not found in
FDD is the Tx/Rx Transition Gap (TTG), which separates the downlink sub-frame from the uplink sub-
frame. The length of the TTG isa DCD channel profile parameter.
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Figure 189—Example of TDD with single-burst TDM DL sub-frame

8.3.3.1.4.2.1 TDD Channel Descriptor Field Definitions
This clause identifies channel descriptor formats for a system using a TDD downlink.
8.3.3.1.4.2.1.1 DL Channel Descriptor Parameters

Each Downlink Channel Descriptor (DCD) message channel descriptor shal include the following TLV
encodings:

Downlink_Burst_Profile
BSEIRP

Frame Duration Code
DCD Channel 1D

TTG

8.3.3.1.4.2.1.2 DL Burst Descriptor Parameters

Each DCD message burst descriptor shall include the following TLV encodings:

Modulation Type

Reed Solomon Information Bytes (K)
Reed Solomon Parity Bytes (R)

BTC Row Code Type

BTC Column Code Type
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8.3.3.1.4.2.1.3 UL Channel Descriptor Parameters

BTC Interleaving Type

DIUC Mandatory Exit Threshold
DIUC Minimum Entry Threshold
Preamble Length

CC-gspecific Parameters

Unigque Word Length

Pilot Word Parameters

Transmit Diversity Type

Block Interleaver Depth

DL Burst Transition Gap
Alamouti Parameters

C802.16a-02/55

Each Uplink Channel Descriptor (UCD) message channel descriptor shall include the following TLV encod-

ings:

8.3.3.1.4.2.1.4 UL Burst Descriptor Parameters

Uplink_Burst_Profile
Symbol Rate
Frequency

SS Transition Gap
Roll-Off Factor

Contention-Based Reservation Timeout

Channel Width
Network Registration SSTG

See clause 8.3.3.1.4.1.3.4.

8.3.3.1.4.3 Burst Profiles for Standard Bursts

In order to inter-operate with any base station, a SS must be capabl e of
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decoding DL bursts containing a Frame Control Header; and
sending Request messages over a contention channel in aformat that the BS is seeking.

8.3.3.1.4.3.1 DL Bursts Containing a Frame Control Header

A compliant SS shall be capable of demodulating a Frame Control Header with the parameters listed in
Table 205 and Table 206; a compliant BS shall be capable of transmitting FCHs using one of these sets.

Table 205—DCD channel profile setting for Broadcast FCH message

DCD Channél
Profile
Par ameter

Default Setting

Alternativesthat
shall supported by
auto-detection or
SW initialization

Roll-off factor

0.25

Table 206—DCD burst profile settings for DL burst containing for Broadcast FCH

DCD Burst Profile
Par ameter

Default Setting

Alternativesthat shall
supported by auto-
detection or SW
download
parameterization

Modulation Type
(FCH payload only)

QPSK, Concatenated FEC
without block interleaving

Inner (CC) Code Rate
(FCH payload only)

12

RS Parameters base K= 239 bytes;
K variable via shortening
with fixed
R= N-K = 16 bytes
Preamble Length length=mU + R, symbs; 2sm<11;
m = 3 repeated UWS;
Ry = 4 ramp symbs osRs%SGO
in increments of 4
symbs
Unique Word Length U = 64 symbs U = 16, 256
(optional for some symb
rates)
Pilot Word Parameters n = 0 repeated UWSs; n=1,2;
F = 256 symb interval F= 256 (when U # 256),
F = 1024

Transmit Diversity Type

None
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8.3.3.1.4.3.2 Bursts on Request Slots
A compliant SS shall be capable of formatting a Request over a Network Registration Slot or BW Request

using al combinations of the channel and burst settings listed in Table 207 and Table 208. A compliant BS
shall designate at least one of these combinations as the expected format in its UL MAPs for these dots.

Table 207—UCD channel profile settings for UL Request Contention Slots

UCD Channel
Profile
Par ameter

Default Setting

Alternativesthat

supported by a SS

shall be

transmitter

Roll-off factor

0.25

SS Transition 0 symbs + RxDS 0-50 symbs+ RxDS
Gap Length (UW) length (UW) length

Network Reg- 30 symbs + RxDS 0-500 symbs +

istration SSTG (UW) length RxDS length

Table 208—UCD burst profile settings for UL Contention Slots

UCD Burst Profile
Par ameter

Default Setting

Alternativesthat shall be
supported by a SS
transmitter

Modulation Type

QPSK, Concatenated FEC
without block interleaving

Inner Code Rate

12

RS Parameters

base K= 239 bytes;
K variable via shortening
with fixed
R= N-K =16 bytes

Preamble Length

length=mU + R, symbs;
m = 3 repeated UWS;
R, = 4 ramp symbs

2<m<11;

OSRS%SGO

in increments of 4

symbs
Unique Word Length U = 64 symbs U =16, 256
(optional for some symb
rates)
Pilot Word Parameters n = 0 repeated UWs n=12;
F = 256 symb interval F = 256 (when U # 256),
F=1024

Transmit Diversity Type

None
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8.3.3.1.4.4 Burst Profiles for non-Broadcast and non-Contention Messages

Burst profiles for non-broadcast and non-contention messages are adaptive (and potentialy negotiable).
Such burst profiles are specified by the MAC management encodings of clause 11.1.

8.3.3.1.4.5 PHY-Specific Frame Control Header Definitions
8.3.3.1.4.5.1 DL Information
8.3.3.1.4.5.1.1 PHY Synchronization Field

Table 209 provides the format of the PHY Synchronization Field of the Frame Control message described in
6.2.2.3.2.

Table 209—SC2 PHY synchronization field

Syntax Size Notes

PHY _synchronization_field() {

Frame duration code() 8 bits
Frame number 24 bits
Allocation_Start_Time 32 bits

Frame duration code()- See clause 8.3.3.1.4.5.1.2 and Table 210.
Frame number- The Frame number. Isincremented by 1 each frame and eventually wraps around to zero.

Allocation_Start_Time- Effective start time of the downlink allocation defined by the DL-MAP in units of
mini-sots. This start time isrelative to the start of the frame in which the DL-MAP message is transmitted.

8.3.3.1.4.5.1.2 Frame duration codes

Table 210 indicates the various frame durations that are alowed. The actual frame time used by the DL can
be determined by the periodicity of the frame start preambles.

Table 210—Frame dur ation codes

Codel™) | ghration (](Tr??ni)
0-6 N/2+2
7-11 N-1
12-255 Reserved
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A frame isan integer multiple of minislots long, with the multiple being chosen such that the resulting actual
duration is as close as possible to a nominal frame duration listed in Table 210. For TTD systems, the TTG
shall be no lessthan 5 p sin duration.

When using Alamouti STC Encoding, the frame shall contain (in addition to all other requirements) an even
number of dua blocks. This requirement shall also be taken into account when choosing an actual frame
duration.

8.3.3.1.4.5.1.3 Number of Information Elements

The number of downlink |E that may appear in asingle MAP message is 255. The field occupies 8 hits.
8.3.3.1.4.5.1.4 Information Element Format

The information elements of Table 212 are used in DL-MAP messages. The format for these DL-MAP mes-
sagesis specified in Table 211.

Table 211—SC2 DL-MAP information element format

Syntax Size Notes

DL-MAP_Information_Element() {

DIUC 4 bits

Offsat 12 bits

DIUC: Downlink Interval Usage Code (see Table 91 in clause 8.2.5.1.2.5)
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Offset: Offset (in units of mini-slots) to the start of the data burst from the mini-slot boundary specified by

the downlink Allocation_Start_Time.

Table 212—SC2 Downlink Interval Usage Codes

|E Name DIuC Minislot Offset
Reserved 0 Reserved
Data Grant 1 1 Starting offset of data grant 1 burst type
Data Grant 2 2 Starting offset of data grant 1 burst type
Data Grant 3 3 Starting offset of data grant 1 burst type
Data Grant 4 4 Starting offset of data grant 1 burst type
Data Grant 5 5 Starting offset of data grant 1 burst type
Data Grant 6 6 Starting offset of data grant 1 burst type
Data Grant 7 7 Starting offset of data grant 1 burst type
Data Grant 8 8 Starting offset of data grant 1 burst type
Data Grant 9 9 Starting offset of data grant 1 burst type
Data Grant 10 10 Starting offset of data grant 1 burst type
Data Grant 11 11 Starting offset of data grant 1 burst type
Data Grant 12 12 Starting offset of data grant 1 burst type
Gap 13 Start offset of an unallocated frame interval
Null 14 Ending offset of the previous grant. Used to
bognd the length of the last actua interval alo-
cation.
Expansion 15 Number of additional 32-bit wordsin the

preceding |E.

8.3.3.1.4.5.2 UL Information

8.3.3.1.4.5.2.1 Number of Information Elements

The number of uplink information elements that may appear in asingle map message is 255. Thefield occu-

pies 8 hits.
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8.3.3.1.4.5.2.2 Information Element Format

C802.16a-02/55

The information elements of Table 214 are used in UL-MAP messages. The format for these UL-MAP mes-

sagesis specified in Table 213.

Table 213—SC2 UL-MAP information element format

Syntax Size Notes
UL-MAP_Information_Element() {
CID 16 bits
uluc 4 bits
Offset 12 bits

Connection Identifier (CID)- Represents the assignment of the IE to a unicast, multicast, or broadcast
address. When specifically addressed to allocate a bandwidth grant, the CID may be either the Basic CID of
the SS or a Traffic CID for one of the connections of the S.S

Uplink Interval Usage Code (UIUC)- A four-bit code used to define the type of uplink access and the burst
type associated with that access. A Burst Descriptor shall be included in an UCD message for each Uplink
Interval Usage Code that is to be used in the UL-MAP. The UIUC shall be one of the values defined in Table

108 of clause 8.2.6.1.2.

Offset- Indicates the start time, in units of mini-slots, of the burst relative to the Allocation Start Time given
in the UL-MAP message. Consequently, the first I1E will have an offset of 0. The end of the last allocated
burst is indicated by allocating a NULL burst (CID = 0 and UIUC = 14) with zero duration. The time
instants indicated by offsets are the transmission times of the first symbol of the burst including preamble.
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Table 214—SC2 UL-MAP information elements
|E Name uluc CID Mini-slot Offset
Reserved 0 NA Reserved for future use
Request 1 any Starting offset of REQ region
Initial . . S )
Maintenance 2 broadcast Starting offset of MAINT region (used in Initial Ranging)
Stati on 3 unicast Starting offset of MAINT region (used in Periodic Ranging)
Maintenance
Data Grant . . .
Burst Type 1 4 unicast Starting offset of Data Grant Burst Type 1 assignment
Data Grant . . .
Burst Type 2 5 unicast Starting offset of Data Grant Burst Type 2 assignment
Data Grant . . .
Burst Type 3 6 unicast Starting offset of Data Grant Burst Type 3 assignment
Data Grant . . .
Burst Type 4 7 unicast Starting offset of Data Grant Burst Type 4 assignment
Data Grant . . .
Burst Type 5 8 unicast Starting offset of Data Grant Burst Type 5 assignment
Data Grant . . .
Burst Type 6 9 unicast Starting offset of Data Grant Burst Type 6 assignment
Ending offset of the previous grant.
Null 1 10 Zer0 Used to bound the length of the last actual interval allocation.
Empty 1 zero Used to schedule gaps in transmission
Reserved 12-14 any Reserved
Expansion 15 E(S?S%Ed # of additional 32-bit wordsin this Information Element

Alamouti Parameters

8.3.3.1.5 Baseband Pulse Shaping

Prior to modulation, | and Q signals shall be filtered by sguare-root raised cosine. A roll-off factor of
a = 0.25 shall be supported; 0.15 and 0.18 are optional, but defined settings. The ideal square-root cosineis
defined in the frequency domain by the transfer function

where

H(f) =9 1,14
e

fl <f(1—a)

|:fN - |f|

D fy(l—a) < [f < fiy(1+a)

[fl = f(1+a)

a
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fn is the Nyquist frequency, Tgis the modulation symbol duration, and R isthe symbol rate.
8.3.3.1.6 Quadrature modulation
Define the quadrature modul ated transmit waveform s(t) as
s(t) = I(t)cos(2mf t) —Q(t)sin(2r t)
where I(t) and Q(t) are the filtered baseband signals of the | and Q symbols and f isthe carrier frequency.
8.3.3.1.7 Power control

Power control shall be supported on the UL, using both initial calibration and periodic adjustment proce-
dures, and without loss of data. To support this, a BS shall be capable of making accurate power measure-
ments of a received signal burst, nominally using the specifications for measurements found in clause
8.3.3.2.2. This measurement can then be compared against a reference level, and the resulting error fed back
to aSSin a calibration message from the MAC.

Although its exact implementation is not specified, the power control agorithm shall be designed to respond
power fluctuations at rates of no more than TBD dB/second and depths of at least TBD dB. Clause
8.3.3.4.1.6 provides recommendations on overall power control range, stepsize, and absolute accuracy in an
implementation.

A power control algorithm shall also account for the interaction of the RF power amplifier with different
burst profiles. For example, when changing from the QAM modulation of one burst profile to another,
amplifier back-off margins shall be maintained to prevent peak clipping and violation of emissions masks
and/or excessive transmitter EVM.

8.3.3.2 Channel quality measurements
8.3.3.2.1 Introduction

RSSI, CINR, and uncoded BER signa quality measurements and associated statistics can aid in such pro-
cesses as BS selection/assignment and burst adaptive profile selection. As channel behavior is time-variant,
both mean and standard deviation statistics for RSS| and CINR are defined, while only a mean statistic for
uncoded BER is defined.

The process by which RSSI measurements are taken does not necessarily require receiver demodulation
lock; for thisreason, RSSI measurements offer reasonably reliable channel strength assessments even at low
signal levels. On the other hand, although CINR measurements require receiver lock, they provide informa-
tion on the actual operating condition of the receiver, including interference and noise levels, and signal
strength. CINR measurements also tend to have much more resolution than BER measurements in assessing
channel quality, especialy at high CINRs.

8.3.3.2.2 RSSI mean and standard deviation
When collection of RSSI measurements is mandated by the BS, a SS shall obtain an RSSI measurement
from the data associated with MAC MAP messages. From a succession of RSSI measurements, the SS shall

derive and update estimates of the mean and the standard deviation of the RSSI, and report them when solic-
ited via RNG-REQ messages.
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Mean and standard deviation statistics shall be reported in units of dBm. To prepare such reports, statistics
shall be quantized in 1 dB increments, ranging from a maximum of -60 dBm (encoded 0x3F) to a minimum
of -123 dBm (encoded 0x00). Values outside this range shall be assigned the closest extreme value within
the scale.

The method used to estimate the RSS| of a single message is left to individual implementation, but the rela-
tive accuracy of asingle signal strength measurement, taken from a single message, shal be +/- 2 dB, with
an absolute accuracy of +/- 4 dB. This shal be the case over the entire range of input RSSIs. In addition, the
range over which these single-message measurements are measured should extend 3 dB on each side beyond
the —60 dBm to -123 dBm limits for the final averaged statistics that are reported.

The (linear) mean RSSI statistics (in mW), derived from a multiplicity of single messages, shall be updated
using

R[O] k=0

~ mwW
(1-a)prssi[k—1] +a R[K] k>0

Urss[K] = {

where k is the time index for the message (with the initial message being indexed by k = 0, the next mes-
sageby k = 1, etc.), R[K] isthe RSSI in mW measured during message k, and a isan averaging parameter
specified by the BS. The mean estimate in dBm shall then be derived from

N

u [k = 10log(prsg[K]) dBm.

RSSI dBm

To solve for the standard deviation in dB, the expectation-squared statistic shall be updated using

IR[0]|? k=0

~2
Xrssi[Kl = > )
(1-0a)X3eg[k—1] +a |RIK]| k>0

and the result applied to

N

— ~2 - 2
RSSI dB 5log(|Xgsg [Kl —(URssi[K]) [) dB.
8.3.3.2.3 CINR mean and standard deviation

When Carrier-to-Interference-and-Noise-Ratio (CINR) measurements are mandated by the BS, a SS shall
obtain a CINR measurement from the data associated with MAC MAP messages. From a succession of
these measurements, the SS shall derive and update estimates of the mean and the standard deviation of the
CINR, and report them when solicited via RNG-REQ messages

Mean and standard deviation statistics for CINR shall be reported in units of dB. To prepare such reports,
statistics shall be quantized in 1 dB increments, ranging from a minimum of -10 dB (encoded 0x00) to a
maximum of 53 dB (encoded Ox3F). Values outside this range shall be assigned the closest extreme value
within the scale.

The method used to estimate the CINR of asingle message isleft to individual implementation, but the rela-

tive and absolute accuracy of a CINR measurement derived from a single message shall be +/-1 dB and +/-2
dB, respectively, for all input CINRs above 0 dB. In addition, the range over which these single-packet mea-
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surements are measured should extend 3 dB on each side beyond the —10 dB to 53 dB limits for the final
reported, averaged statistics.

One possible method to estimate the CINR of a single message is by normalizing the mean-squared residual
error of detected data symbols (and/or pilot symbols) by the average signal power using

CINR[K = ’Eﬂ[l;]l,

where CINR[K] isthe (linear) CINR for message k, r[k, n] isreceived symbol n within message k; s[k, n]
the corresponding detected or pilot symbol corresponding to received symbol n;;

N-1

A = 3 Isfk,n]®

n=0
isthe average signal power, which is normally kept constant within a message by action of AGC; and

N-1
E[K = ¥ Ir[k n] — sk, n]|*.
n=0

The-mean CINR statistic (in dB) shall be derived from amultiplicity of single messages using

! [k = 10log(HcinrlK]),

H CINR dB
where
~ CINRJO k=0
Heinr[K] :{ ~ o
(L—a)ucinrlk—=1] +a CINR[K] k>0

k isthetime index for the message (with the initial message being indexed by k = 0, the next message by
k = 1, etc.); CINR[K] is alinear measurement of CINR (derived by any mechanism which delivers the pre-
scribed accuracy) for message k; and o is an averaging parameter specified by the BS.

To solve for the standard deviation, the expectation-squared statistic shall be updated using

ICINR[0]|* k=0
(1-a)Xgyrlk—1] +a|CINR[K]|? k>0

~2
XcinrlKl =

and the result applied to

N

: - 2
CINRdB 5log( XéINR[k]_(p-CINR[k]) ) dB.
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8.3.3.2.4 Uncoded mean BER

When uncoded BER measurements are mandated by the BS, a SS shall obtain an uncoded BER measure-
ment from the data associated with MAC MAP messages. From a succession of these measurements, the SS
shall derive and update an estimate of the mean of the uncoded BER. The SS shall then be capable of report-
ing this mean BER estimate via RNG-REQ messages.

The mean statistic shall be reported in integer-quantized 10log;o(BER) units, spanning from —3 (BER=5e-1
in linear terms) to —66 (BER=2.5e-7 in linear terms). Va ues that exceed the extremes of —3 and —66 shall be
encoded using the codes for the extreme vaues. These results shall be encoded into 6-bit words such that
0x00 represents -66 and Ox3F represents -3.

The uncoded BER of a single message shall be derived XORing an uncoded bit stream with a reference bit
stream, and recording the number of dissimilar bit locations aswell of the length of the bit stream. The BER
isthen calculated from the ratio of the number of bit errorsto the total number of bitsin the message to form
the BER measurement, BER[K] , for message k.

The bit decisions for the uncoded bit stream are derived by directly slicing the incoming symbol stream,
without passing the data to the FEC for decoding. The bit decisions for the reference stream are derived by
obtaining bit decisions from the FEC output (or the output of sub-element within the FEC, such as the inner
code decoder) and re-encoding these bit decisions.

The mean BER statistic shall then be updated using

BER[0] k=0

ltlBER[k] = { ~
(1- ) pger[K—1] +0 BER[K] k>0

where k isthe time for message k (with the initial message being indexed by k = 0, the next message by
k = 1, etc.); and a isan averaging parameter supplied by the BS as a system parameter.

The logarithmic form used for BER reports shall be computed using

u [k = 10log(pger(k]) dB.

BER dB
8.3.3.3 Antenna Diversity Systems

Diversity techniques are likely to find application in some broadband wireless installations. Receive diver-
sity does not require special considerations on the part of the air interface or framing. With two-way delay
transmit diversity, where two transmit antennas are used and the output of the second antenna is delayed
with respect to the first, the considerations are minor. Namely, both receiver equalization and framing must
be adequate to accommodate the extradelay spread introduced in the system due to the delayed output of the
second transmitter.

However, framing considerations arise when the Alamouti transmit diversity scheme [B30] is to be used.
Clause 8.3.3.3.1 describes the Alamouti transmit diversity scheme for the SC2 PHY and specifies framing
that shall be used in its implementation.

8.3.3.3.1 Alamouti Transmit Diversity

Implementation of Alamouti transmit diversity is optional.
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The Alamouti transmit diversity scheme logically pairs blocks of data separated by delay spread guard inter-
vals. These paired blocks are jointly processed at both the transmitter and receiver. The technique to be
described is particularly amenable to a frequency domain equalizer implementation.

8.3.3.3.1.1 Paired Block Transmit Processing

N=F+U symbols N=F+U symbols
;?egyd F symbols (payload) s%?e% F symbols (payl oad)
guard guard
- B i - - d
Block 0 Block 1

Figure 190—Paired blocks used in Alamouti transmit diversity combining

Figure 190 illustrates block pairing that shall be used by the Alamouti transmit diversity scheme. Let
{solnl} and {s;[n]} represent two sequences, each of length F symbols (0 < n < F), that are desired to be delivered to
areceiver using the Alamouti transmit diversity scheme. Table 215 indicates the block multiplexing structure that
atwo antenna transmitter shall use to transmit the two sequences over the paired blocksillustrated in Figure
190. As Table 215 indicates, Transmit Antenna O shall transmit its data sequences in order, with no modifi-
cations. However, Transmit Antenna 1 must not only reverse the order in which its blocks are transmitted,
but must also conjugate the transmitted complex symbols and must also time-reverse---cyclically about
zero, modulo-F---the sequence of data symbols within each block. Clause 8.3.3.3.1.4 provides detail s on the
composition of the delay spread guard interval s between the blocks illustrated in Figure 190.

Table 215—M ultiplexing arrangement for block Alamouti processing

TX Antenna Block 0 Block 1
0 { solnl} {s.[n]}
1 {-s;HH(F=n)mod(F))I} | {seM(F—n)mod(F))]}

8.3.3.3.1.2 Paired Block Receive Processing

If S,(¢%), $,(€9), Ho(¢®), Hy(€“), Ny(¢®), and N, (¢®) represent the Discrete-time Fourier transforms,
respectively, of the symbol sequences {sy[n]} and {s;[n]} , channel impulse responses (for the channels
associated with each transmitter antenna) { hy[n]} and {h,[n]} , and additive noise sequences (associated

with each block) {ng[n]} and {n,[n]} , the received signals associated with each block, interpreted in the
frequency domain, are:

Ry(€%) = Ho(¢)%(€“) —H, ()8, ) + No(d®) (6)
Ry (€%) = Ho(€“)S,(€) + Hy(¢9)5yT&®) + Ny (¢2) 7)

Assuming that the channel responses Ho(ej‘*’) and Hl(ej‘*’) are known, one shall use the frequency domain
combining scheme

40



OCoO~NOUITAWNPE

2002-05-14 C802.16a-02/55

Co(¢®) = HAE)R(€) + Hy(€9)R, (€ (8)
C(€Y) = —Hy(€))RyAE®) + Hyd(“)R, (€%) 9
to obtain the combiner outputs

Cot@®) = (Ho(d)|* +|Hy(d))S(e) + Hoad“)Ng(d®) + H, ()N, ) (10)

Co@®) = ([Ho(@®)” + [Ho(d) )51 “)-Ha (€ INGTE®) + Ho TN, (€9) (12)

The combiner outputs of Eq. 10 and Eq. 11 can then be independently equalized using frequency domain
equalizer techniques (see [B21], for an example) to obtain estimates for {sy[n]} and {s;[n]} .

8.3.3.3.1.3 Channel Estimation Using Pilot Symbols

The channel responses used by the equalizer(s) can be estimated using data received during pilot symbol
intervals. Under the assumption that pilot symbols are the same in the O and 1 blocks, i.e,
$'E) = L") = 5,6(¢®) , the sum and differences of Eq. 6 and Eq. 5 can be multiplied by
Syt (€*) to yield (ignoring noise terms):

Shta () (RG '@ + R (€)= 28500 Ho(@) (12)
Spi|0t(ejw)(REiIOt(ejw)—RgiIOt(ejw)): Z‘Sp“mejm‘ZHl(ejw) (13)

The channel estimation task simply involves dividing the left hand sides of Eq. 11 and 12 by a constant inde-
pendent of frequency, since pilot symbols are derived from the Unique Words o; clause 8.3.3,1.3.2, and
these Unique Words have a constant frequency domain magnitude, i.e., ‘Spi,m(e“*’)‘ = ‘SUW(e“*’)‘ =C.

8.3.3.3.1.4 Paired Block Profiles

Figure 191 and Figure 192 illustrate two defined frame (burst) profiles for Alamouti transmit diversity sig-
naling.

Figure 191 illustrates the baseline framing structure for Alamouti transmit multiplexing. Thisis cyclic-pre-
fix-based frame structure, with U-symbol cyclic prefixes, and F-symbol repetitions chosen to facilitate effi-
cient FFT-based processing at the receiver. Note that athough the cyclic prefix is not composed of Unique
Words, the length, U, must be the same as the Unique Word length being used by the burst profile. Observe
that the payload portions of Figure 191 reflect the Alamouti antenna multiplexing format described in Table
215 for Transmit Antennas 0 and 1. Note that a UW may be inserted within Payloads 0 and 1 to facilitate the
use of frequency domain equalizers with time-domain decision feedback taps.
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B N=F+U symbols L N=F+U symbols
Processing interval Processing interval
__forBlogk0 o forBlagkl
TX Antennao | CPof last| F symbolspayload 0: | CPof last| F symbols payload 1:
U symbols Poln] U symbols p,In]
Cyclic Prefix Cyclic Prefix

TX Antenna 1 | CPof 1ast | Neg. timerev. payload 1: | CPof last|  Time rev. payload 0:
U symbols| —p,CJ(F —n)mod(F)] |U symbols| p,J(F—n)mod(F)]

A A

Cyclic Prefix Cyclic Prefix
Figure 191—Cyclic prefix-based Alamouti framing

Figure 192 illustrates another burst profile which explicitly uses Unique Words, rather than a repetition of
the payload data, to generate cyclic prefixes.

F, the length of an Alamouti block, is a burst profile parameter. The choice of the burst profile for the paired

blocks, i.e., the scheme illustrated in Figure 191 or the scheme illustrated in Figure 192, is also a burst pro-
file parameter.

U M U U M U

<« > < > —> -« > <>
uw Payload O uw uw Payload 1 uw
ufn] Poln] uln] ufn] p,[n] uln]
Block 0: Payload 0 & UWs Block 1: Payload 1& UWs
byl ] b, [n]
- N symbols T N symbols g
Processing interval for block O: Processing interval for block 1:
F=M+U symbols F=M+U symbols
X block O: block 1:
Antenna 0 boln] by[n]
TX Neg. time rev. block1: Timerev. block O:
Antenna 1 —b, (N —n)mod(N)] boH (N —n)mod(N)]

Figure 192—Alamouti framing using UWs as cyclic prefixes

8.3.3.3.1.5 Alamouti Burst Elements

An Alamouti Burst shall consist of a preamble, followed by a payload, which may consist of multiple pairs
of Alamouti blocks.

Unlike conventional bursts, a tergth-J RxDS element shall not appear at the conclusion of an Alamouti
burst.
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8.3.3.3.1.5.1 Burst Preamble

Figure 193 illustrates the burst frame preamble that shall be used for bursts using Alamouti transmit diver-
sity encoding. The number of UW blocks composing an Alamouti burst preamble is a burst profile parame-
ter, through reuse of the genera burst profile encoding for the number of UWSs in a Preamble. However,
since two channels must be estimated, the total number of UWs used to construct an Alamouti burst pream-
ble shall be twice the number specified in the burst profile encoding.

m repetitions m repetitions
Up u[n] u[n] u[n] u[n]
TX antenna 1: | Ramp . uw . uw . uw . uw
Up |-u [(U-nymod(U)]|==1-u [(U-n)mod(U)] | u [(U-n)mod(U)] |==*1 u [(U-n)mod(U)]

U symbols
Figure 193—Alamouti frame preamble

Note that this preamble structure may aso be inserted within a transmission as a group of contiguous Pilot
Words, to assist in channel estimation and updating within a burst. In such an instance, this contiguous pilot
symbol structure is considered external to the paired Alamouti payload data blocksillustrated in Figure 191,
although the pilots may appear after every Lt paired payload block, where L is an integer greater than or
equa to 1.

8.3.3.3.1.5.1.1 Ramp Up

Ramp-up shall use the same procedure described in clause 8.3.4.1.3.1.1.2, with the exception that the ramp
up symbols for each transmit antenna are duplicates of the last R, symbols of the first length-U data element
in the Preamble. Note that this implies that first transmit antennas derives its ramp up symbols from a stan-
dard Unique word sequence {u[n]} , while second transmit antenna derives its ramp up symbols from the
sequence {—ul] (U —n)mod(U)]} .

8.3.3.3.1.5.2 Payload Data

Payload data within an Alamouti-encoded burst shall be formatted into block pairs, with each block pair
possessing one of the block pair profiles described in 8.3.3.3.1.4. If not enough data is available to fill the
last block pair, then the payload must be filled with null payload fill, as specified in clause 8.3.4.1.3.1.3.
Except for the payload fill, modulations are sequenced in terms of decreasing modul ation robustness on the
Tx Ant O channdl.

8.3.3.3.1.5.2.1 Pilot Words

The preamble structure of Figure 193, minus the ramp-up symbols, may aso be inserted within a transmis-
sion as a group of contiguous Pilot Words, to assist in channel estimation and updating within a burst. In
such an instance, this contiguous pilot symbol structure is considered external to the paired Alamouti pay-
load data blocks illustrated in Figure 191, although the pilots may appear after every K™ paired payload
block, where K is an integer greater than or equal to 1. The pilot word repetition interval, and the number of
UWs composing a pilot word is a burst profile parameter.
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8.3.3.3.1.5.3 Ramp Down

Ramp down follows the end of a burst. A transmitter shall ramp down by inserting zero symbol inputs into
the transmit filter memory following the last intended data symbol, and windowing the resulting, transmit-
filtered output waveform with a multiplicative raised cosine window that diminishesto zero in R, symbols.
The (Alamouti burst) ramp-down interval, R, shall be the same as the ramp-up interval.

8.3.3.3.2 Interoperability with Non-Alamouti-encoded Bursts

For interoperability reasons, Alamouti-encoded data and conventionally-encoded data shall not be time divi-
sion multiplexed within the same burst. Instead, the Alamouti data shall be encapsulated within its own
burst, and possess its own preamble.

All bursts with different Alamouti pair block sizes, F, shall also be segregated, although they may share the
same preamble.

On amixed DL containing both Alamouti-encoded bursts and conventional bursts, the FCH shall be trans-
mitted at the beginning of the DL MAC sub-frame using conventional encoding. If the DL transmits prima-
rily Alamouti-encoded data, then a FCH (describing frame control details for Alamouti-encoded data) may
be Alamouti encoded and transmitted---if all SSs support the Alamouti block size F used for this FCH data.

8.3.3.4 Minimum Performance Recommendations
8.3.3.4.1 System Requirements
8.3.3.4.1.1 Channel Frequency Accuracy

RF channel frequency accuracy for a SS should be within +/-15 parts per million (ppm) of the selected RF
carrier over atemperature range of —40 to +65 degrees C operational and up to 5 years from the date of man-
ufacture of the equipment manufacture.

A BS can generally support the use of highly stable ovenized and/or disciplined oscillators with minimal
overall system cost impact. For this reason, the frequency accuracy for a BS shall be within +/-4 ppm of the
selected RF carrier over an operational temperature range of —40 to +65 degrees C, up to 10 years from the
date of equipment manufacture.

8.3.3.4.1.2 Carrier Phase Noise

A BS transmitter should exceed an integrated double sideband carrier phase noise of 1.1 degrees RMS from
10 kHz to 2 MHz, while an SS transmitter should exceed 2.3 degrees RMS from 10 kHz to 2 MHz. These
values should be suitable to meet the detection requirements for the respective highest mandatory modula-
tion indicesfor the DL (64-QAM) and UL (16-QAM).

8.3.3.4.1.3 Symbol Rate
Carrier frequency stability, analog filter responses, the roll-off factor of aroot-raised-cosine (RRC) filter, as

well as spectral mask requirements are considerations when selecting an operating symbol rate. Table 216
provides sample recommendations on nominal symbol rates for several RF channel bandwidths, when
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QPSK signaling is used. In this example, assumptions include frequency stabilities of 15 ppm in the SS and
4 ppminthe BS, aswell as aroll-off factor for the RRC filter of 0.25,

Table 216—Nominal symbol ratesfor a sample system using QPSK and aroll-off factor of 0.25.

Channel Nominal
Bandwidth Symbol Rate
(MH2) (Msymb/s)
25 19.84
20 15.84
14 11.04
10 7.84
7 5.44
6 4.64
5 3.84
35 2.64
3 2.24
1.75 124
15 1.04

8.3.3.4.1.4 Symbol Timing Jitter

The minimum-to-maximum difference of symbal timing over a 2 second period should be |ess than 2% of
the nominal symbol period. This jitter specification should be maintained over an operational temperature
range of —40 to +65 degrees C.

8.3.3.4.1.5 Transmitter Minimum SNR and EVM

A transmitted signal should have an SNR of no less than 40 dB at the transmit antenna feed point. The trans-
mitter EVM should be no greater than 3.1%, assuming 64-QAM.

8.3.3.4.1.6 Transmitter Power Level Control

A SS transmitter should provide 50 dB of power level control with atolerance of +/-3 dB and step size of 1
dB. A BStransmitter should provide 20 dB of power level control with atolerance of +/-3 dB and stepsi ze of
1dB.

8.3.3.4.1.7 Ramp up/down Requirements

During ramp up and ramp down of burst power, transmit output power should be within +/- 3 dB of the

desired average power within 5 us. Transients due to the transmit filter impul se response should be factored
into settling time cal culations.
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8.3.3.4.1.8 Spurious Emissions during burst On/Off transients

A transmitter shall control spurious emissions to conform with applicable regulatory requirements. This
includes prior to and during ramp up, during and following ramp down, and before and after a burst in a
TDM/TDMA scheme.

8.3.3.4.1.9 Out of Band Spurious Emissions

Out of band spurious emissions shall conform with applicable loca regulatory spectral masks and band-
widths described in clause 8.3.1.

8.3.3.4.1.10 Receiver Sensitivity

Recommendations on the threshold sensitivity value for a receiver, referenced to the receiver input, are as
follows. These figures are intended to represent uncoded 10% BER performance, with no framing or coding
overhead included.

r]QpSK =-934 + 10*|Og(BW)
N16-0aM = -86.6 + 10*|Og(BW)
r]64_QAM =-804+ 10*|Og(BW)

These figures were computed using the formula: -114 + 10*10g(BW) + SNR;¢;, + NF, where

BW - Bandwidth in MHz (.125 to 28 MHz);

SNR¢q - Required SNR for 10° BER and no FEC coding

NF - Noise figure of the radio (conservatively, 7 dB assumed)
the constant -114 dBm = 10 log(k* T / 1 mW) + 10 log(1 MHz)
k = Boltzmann's Constant (1.3807 x 1023)

T = Temperature in Kelvin (290 K).

SNR;¢ values (for uncoded signals at 10 BER) used in computing these values were:

QPSK: 13.6 dB

16 QAM: 20.4 dB

64 QAM: 26.6 dB.
8.3.3.4.1.11 Receiver Maximum Input Signal
A BS should be capable of receiving a maximum on-channel operationa signal of —40 dBm and should tol-
erate amaximum input signal of 0 dBm without damage to circuitry. A SS should be capable of receiving a
maximum on-channel operational signal of —20 dBm and should tolerate a maximum input signal of 0 dBm
without damage to circuitry.
8.3.4 WirelessMAN-OFDM and WirelessMAN-OFDMA PHY Layer
8.3.4.1 Introduction

The WirelessM AN-OFDM and WirelessM AN-OFDMA ([B27], [B28]) PHY s, both based on OFDM modu-
lation, are designed for operation in the 2-11 GHz frequency bands per clause 1.2.4.

Clauses 8.3.4.1 and 8.3.4.2 define common characteristics of these two PHY's, while clause 8.3.4.3 provides

details specific to the OFDM PHY and clauses 8.3.4.4 and 8.3.4.5 provide details specific to the OFDMA
PHY. Clause 8.3.4.6 contains PHY features specifically designed for 5 GHz license-exempt operation.
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8.3.4.1.1 Generic OFDM Symbol description

The OFDM symbol duration, or the related carrier spacing in frequency, is a major design parameter of an
OFDM system. The symbol duration is composed of the FFT interval and of the Cyclic Prefix (CP) (see
clause 8.3.4.1.2).

The number of carriers utilized, N, .4, is usualy only about 83% of the FFT bins (see 8.3.4.1.3). For imple-
mentation reasons, this number is chosen to be about 83% of the nearest power of 2. This choice involves
implementation aspects of anti-aliasing filters. Note that the choice of FFT size is an artificial implementa-
tion parameter. For example a modulation of lessthan 256 carriers can be implemented either with a FFT of
size 256, or with a FFT of size 512 at double sampling rate. We will stick with the convention, in which
OFDM modes are denoted by the "FFT size" which is the smallest power of two above the number of carri-
ers.

8.3.4.1.2 Time domain description.
Inverse-Fourier-transforming creates the OFDM waveform; this time duration is referred to as the useful
symbol time T,. A copy of the last samples is inserted before the useful symbol time, and is called the

Cyclic Prefix (CP); its duration T, is denoted as a fraction of the useful symbol time. The two together are
referred to as the symbol time T . Figure 194 illustrates this structure.

y

<> < >
Ty Th
TS

- >

Figure 194—OFDM Symbol time structure

A cyclic extension of T, usis used to collect multipath, while maintaining the orthogonality of the tones.
The transmitter energy increases with the length of the guard time while the receiver energy remains the
same (the cyclic extension is discarded), so there is a 10log(1-T,/(Ty+ Ty))/log(10) dB loss in SNR.
Using acyclic extension, the samples required for performing the FFT at the receiver can be taken anywhere
over the length of the extended symbol. This provides multipath immunity aswell as atolerance for symbol
time synchronization errors.
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On initialization, a SS should search all possible values of CP until it finds the CP being used by the BS.
Once a specific CP duration has been selected by the BS for operation on the DL, it should not be changed.
Changing the CP would force all the SSsto resynchronize to the BS.

The CP overhead fraction can be reduced by using larger FFT intervals (i.e. alarger FFT size). Larger FFT
intervals do however, among other things, adversely affect the sensitivity of the system to phase noise of the
oscillators. To facilitate a choice in this trade-off, the designed PHY providesfor various FFT sizes.
8.3.4.1.3 Frequency Domain Description

The frequency domain description includes the basic structure of an OFDM symbol.

An OFDM symbol is made up from carriers, the number of which of determines the FFT size used. There
are several carrier types:

» Datacarriers - for data transmission
» Pilot carriers - for various estimation purposes
* Null carriers- no transmission at all, for guard bands and DC carrier.

Figure 195 illustrates such a scheme:

Data Carriers DC carrier Pilot Carriers

............... T/\ \ a  Ta
|

_Guard Band Channel Guard band ¥
Figure 195—O0OFDM frequency description (256-FFT example)

>

The purpose of the guard bands is to enable the signal to naturally decay and create the FFT "brick Wall"
shaping.

In the OFDMA mode, only part of all active carriers may be used by the transmitter, the different carriers of
which may be intended for different (groups of) receivers. A set of carriers intended for one (group of)
receiver(s) istermed a subchannel. The carriers forming one subchannel may, but need not be adjacent. The
concept is shown in Figure 196.
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Subchannel 1 Subchannel 2 DC carrier Subchanned 3

v

NN N
B A AR A

¥_Guard Band Channel Guard band Y
Figure 196—OFDMA frequency description (3 channel schematic example)

The symbol isdivided into logical subchannels to support scalability, multiple access, and advanced antenna
array processing capabilities. The subchanne structure will depend on the purpose for the subchanneliza-
tion. For wideband processing, the mapping is based upon a special permutation code, which distributes
consecutive symbols across the available bandwidth.

The number of carriers in the OFDMA mappings assigned to each subchannel is independent of the FFT
size. For example doubling the FFT size hence results in twice the number of subchannels.

8.3.4.2 Common characteristics

This clause describes elements common to the OFDM and OFDMA PHY layers specifications.

8.3.4.2.1 OFDM Symbol Parameters

8.3.4.2.1.1 Primitive Parameters

Four primitive parameters characterize the OFDM symbol:

BW. Thisisthe nomina channel bandwidth.

(F¢/BW) . Thisisthe ratio of “sampling frequency” to the nominal channel bandwidth. Required values of
this parameter are specified in clause 8.3.4.3.3 for WirelessMAN-OFDM and clause 8.3.4.4.3 for Wireless-

MAN-OFDMA.

(Ty/Tp) - Thisistheratio of CPtimeto “useful” time. All PHY s shall support the following values: 1/32, 1/
16, 1/8, 1/4.

Nggr - Thisisthe number of pointsin the FFT, if an FFT is used in the implementation.
8.3.4.2.1.2 Derived Parameters

The following parameters are defined in terms of the primitive parameters of clause 8.3.4.2.1.1.

F, = (F¢/BW) (BW = Sampling Frequency
Af = Fo/Nggr = Carrier Spacing
T, = 1/Af = Useful Time

Ty = (Ty/Tp) OT, = CP Time

49



OCoO~NOUITAWNPE

2002-05-14 C802.16a-02/55

Tg = Tp+ Ty = OFDM Symbol Time
1/F4 = Sample Time
8.3.4.2.2 Duplexing modes

To provision bi-directional operation in licensed bands, the PHY shall support FDD, H-FDD or TDD. In
license-exempt bands only TDD shall be supported.

TDD flexibility permits efficient alocation of the available bandwidth and hence is capable of efficiently
alocating the available traffic transport capacity for applications whose uplink to downlink traffic transport
demand ratio can vary with time. TDD operates in single, paired or non-contiguous blocks of frequencies.
FDD /H-FDD can be used by applications that require fixed asymmetric allocation between their uplink and
downlink traffic transport demand. FDD and H-FDD operate in paired downlink / uplink sub-bands.

8.3.4.2.3 Channel Coding
8.3.4.2.3.1 Scrambling (Randomization)

Datarandomization is performed on data transmitted on the DL and UL. The randomization is performed on
each allocation (DL or UL), which means that for each alocation of a data block (subchannels on the fre-
guency domain and OFDM symbols on the time domain) the randomizer shall be used independently. If the
amount of data to transmit does not fit exactly the amount of data allocated, padding of FFx (‘1 only) shall
be added to the end of the transmission block, up to the amount of data all ocated.

The shift-register of the randomizer shall be initialized for each new allocation or for every 1250 bytes
passed through (if the allocation is larger then 1250 bytes).

The Pseudo Random Binary Sequence (PRBS) generator shall be 1+ x*+x" as shown in Figure 197.
Each data byte to be transmitted shall enter sequentially into the randomizer, msb first. Preambles are not
randomized.The seed value, which must be used to calculate the randomization output is combined in an
XOR operation with the first bit of data of each burst. The randomizer sequence is applied only to informa-
tion bits.

data out
datain

/.
Figure 197—PRBS for Data Randomization

The bit issued from the randomizer shall be applied to the FEC encoder.
In the downlink, the scrambler shall be re-initialized at the start of each frame with the sequence:

100101010000000.
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The uplink initiaization of the randomizer is defined for OFDM in clause 8.3.4.3.4.1. and for OFDMA in
clause 8.3.4.4.4.1.

8.3.4.2.3.2 FEC

A FEC, consisting of the concatenation of a Reed-Solomon outer code and a rate-compatible convolutional
inner code, shall be supported on the uplink and downlink. Support of BTC is optional. The Reed-Solomon-
Convolutional coding rate 1/2 shall always be used as the coding mode when requesting access to the net-
work (except when using focused contention or CDMA ranging) and in the FCH burst or DL Frame Prefix.

8.3.4.2.3.2.1 Concatenated Reed-Solomon / convolutional code (RS-CC)

The Reed-Solomon encoding shall be derived from a systematic RS (N=255, K=239, T=8) code using
GF(28), where:

» N number of overall bytes after encoding
»  K-number of data bytes before encoding
e T- number of data bytes which can be corrected

The following polynomials are used for the systematic code:

2T-1

«  Code Generator Polynomial: 900 = X+ A0 A AT AT, N = 02,

»  Field Generator Polynomial: p(x) = Caxtaxd+x+1
This code is shortened and punctured to enable variable block sizes and variable error-correction capability.
When ablock is shortened to K' data bytes, the first 239-K" bytes of the encoder block shall be zero. When a

codeword is punctured to permit T' bytes to be corrected, only the first 2T' of the total 16 codeword bytes
shall be employed. The bit/byte conversion shall be msb first.

Each RS block is encoded by the binary convolutiona encoder, which shall have native rate of 1/2, a con-
straint length equal to K=7, and shall use the following generator polynomials codes to derive its two code
bits:

G, = 171oct FOR X

(14)
G, = 1335y FORY

The generator is depicted in Figure 172.
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X output

Datain

Y output
Figure 198—Convolutional encoder of rate 1/2

The convolutional encoding shall be terminated using tail biting, which isachieved by initializing the encod-
ers memory with the last data bits of the RS block being encoded.

Puncturing patterns and serialization order which shall be used to realize different code rates are defined in

Table 198. In the table, “1” means a transmitted bit and “0” denotes a removed bit, whereas X and Y arein
reference to Figure 172.

Table 217—The inner Convolutional code with Puncturing Configuration

Code Rates
Rate 2/3 3/4 5/6
Ofree 6 5 4
X 10 101 10101
Y 11 110 11010
XY X1Y1Yo | X1Y1YoX3 | XYY oX3Y X5

8.3.4.2.3.2.2 Block Turbo Coding (BTC)

The BTC is based on the product of two simple component codes, which are binary extended Hamming
codes or parity check codes from the set depicted in Table 202.
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Table 218—BTC component codes

Component code (n,k) Codetype
(64,57) Extended Hamming Code
(32,26) Extended Hamming Code
(16,11) Extended Hamming Code
(32,31) Parity Check Code
(16,15) Parity Check Code
(8,7) Parity Check Code

Table 203 specifies the generator polynomials for the Hamming codes. To create extended Hamming codes,
an overall even parity check bit is added at the end of each code word.

Table 219—Hamming code gener ator polynomials

n’ k’ Generator polynomial
7 4 x3+x1+1
15 1 X4+x1+1
31 26 X5+x%+1
63 57 XB+X+1

The component codes are used in a two dimensional matrix form, which is depicted in Figure 200. The k,
information bits in the rows are encoded into n, bits, by using the component block (n,, k,) code specified
for the respective composite code. After encoding the rows, the columns are encoded using a block code (n,
ky), where the check bits of the first code are also encoded. The overall block size of such a product code is
n =n,xn,, the total number of information bits k = k,xk, and the code rate is R = R, xR, where
R = ki/n;,i=X,y. The Hamming distance of the product codeis d = d, x d, . Databit ordering for the com-
posite BTC matrix isthe first bit in the first row isthe Isb and the last data bit in the last data row is the msb.

Figure 199 illustrates an example of a BTC encoded with (8, 4) x (8,4) extended Hamming component
codes.
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Figure 199—Example of an encoded BTC block

Transmission of the block over the channel shall occur in alinear fashion, with al bits of the first row trans-
mitted |eft to right followed by the second row, etc. For the (8, 4) x (8,4) examplein Figure 199, the output
order for the 64 encoded bits would be: D]_1_, D21, D31, D4l' E51, E61' E71, E81' DlZ' D22,..., E88.

To match a required packet size, BTCs may be shortened by removing symbols from the BTC array. In the
two-dimensional case, rows, columns or parts thereof can be removed until the appropriate size is reached.

There are three steps in the process of shortening product codes:

Thefirst step isto remove I, rows and I, columns from the 2-dimensional code. Thisis equivalent to
shortening the constituent codes that make up the product code.

*  The second step of shortening is achieved by removing B individual bits from the first row of the 2-
dimensional code starting with the Isb.

»  Thethird step is dependant upon the specified product code having a non-integral number of data bytes.
In this case, the Q left over Isb bits are zero filled by the encoder. After decoding at the receive end, the
decoder shall strip off these unused bits and only the specified data payload is passed to the next higher
level in the physical layer. The same general method is used for shortening the last code word in a mes-
sage where the available data bytes do not fill the available data bytesin a code block.

These three processes of code shortening are depcited in Figure 200. In the first 2 dimensional BTC, a hon-
shortened product code is shown. By comparison, a shortened BTC is shown in the adjacent 2 dimensional
array. The new coded block length of the code is (ny-1y)(ny-1y)-B. The corresponding information length is
given as (K,-1y)(ky-1y)-B-Q. Consequently, the code rate is given by:

_ (k=10 (k,—1,)-B-Q
(nx—lx)(ny—ly)—B

(15
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r]X r]X
A A ¢Iy
ky : <B—><Q—> ky
ny Checks ny ; Checks
Information Bits ! Information Bits
Checks i Checks
Checks on : Checks on
Yy Checks | Checks
-
- » X
Ky < »

k
Figure 200—BTC and shortened BTC structure

8.3.4.2.3.3 Interleaving

All encoded data bits shall be interleaved by a block interleaver with ablock size corresponding to the num-
ber of coded bits per the smallest possible allocation, Ncgps. Hence, for OFDM, Negpg = 192 and for
OFDMA, Ncgps = 144. Theinterleaver is defined by atwo step permutation. The first ensures (for OFDM)
that adjacent coded bits are mapped onto nonadjacent carriers. The second permutation insures that adjacent
coded bits are mapped aternately onto less or more significant bits of the constellation, thus avoiding long
runs of lowly reliable bits.

Let Ncgps be the number of bits per carrier, i.e. 2, 4 or 6 for QPSK, 16QAM or 64QAM, respectively. Let s
= max(Ncgpg/2,1). Let k be the index of the coded bit before the first permutation at transmission, m be the
index after the first and before the second permutation and j be the index after the second permutation, just
prior to modulation mapping.

The first permutation is defined by the rule:

m = (Negpg/ 16) K0q 16+ floOr (k/ 16) k=01 ..,Npgps—1 (16)

The second permutation is defined by the rule:

j = sOloor(m/s) + (m+ Negpg—floor (16 Cm/ Negpg)) m=0,1 .. ,Negps—1 an

mod s

The de-interleaver, which performs the inverse operation, is also defined by two permutations. Let j be the
index of the received bit before the first permutation, m be the index after the first and before the second per-
mutation and k be the index after the second permutation, just prior to delivering the coded bits to the convo-
lutional decoder.

The first permutation is defined by the rule:

m = s[floor(j/s) + (j + floor (16 §/Ncgps)) g s i =0,1,...,Negps—1 (18)
The second permutation is defined by the rule:
k = 16 I — (Nggpg— 1) [Floor (16 I/ Negpg) m=0,1,...,Negps—1 (19)

55



OCoO~NOUITAWNPE

2002-05-14 C802.16a-02/55

The first permutation in the de-interleaver is the inverse of the second permutation in the interleaver, and
conversely.

8.3.4.2.4 Modulation
8.3.4.2.4.1 Data modulation

After bit interleaving, the data bits are entered serially to the constellation mapper. Gray-mapped QPSK and
16QAM as shown in Figure 180 shall be supported, whereas the support of 64QAM is optional. The constel-
lations as shown in Figure 180 shall be normalized by multiplying the constellation point with the factor ¢ as
shown in Figure 180 to achieve equal average power.

Per-allocation adaptive modulation and coding shall be supported in the DL. The UL shall support different
modulation schemes for each user based on the MAC burst configuration messages coming from the Base
Station. Complete description of the MAC / PHY support of adaptive modulation and coding is provided in
clause 6.2.7.

byb;bg f c=1/.J42
011 - . . e 71 o . . .
010 e ) ) e 5+ e . . °
000 e o o ¢ 31 e . . .
001 e . . e 11 e . .
<! I | I I | | . |
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blbO 101 e . . -1+ e . . .
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100 e . . e -3+ e . .
00 ° e 1+ e °
< | | o | 110 e . . e-51- e . . .
- -1 1 3
10 e e -1 e .
111 . . o7+ e . . .
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/

11 10 00 01 bghy
Figure 201—QPSK, 16 QAM and 64 QAM constellations

The constellation-mapped data shall be subsequently modulated onto the allocated data carriers.
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8.3.4.2.4.2 Modulation and coding in the DL frame prefix
Rate ID’s, which are used to describe burst profiles, and indicate modulation, coding as well as the cyclic

prefix to be used in thefirst DL burst immediately following the FCH, are shown in Table 220. The Rate 1D
encoding is static and cannot be changed during system operation

Table 220—Rate ID encodings

modulation

Rate ID RS-CCrate

QPSK 1/2

QPSK 3/4

16QAM 1/2

16QAM 3/4

64QAM 2/3

a |~ wWw | NN | O

64QAM 3/4

@
AN
a

Reserved

8.3.4.2.4.3 Pilot Modulation

Pilot carriers shall beinserted into each data burst in order to constitute the Symbol and they shall be modu-
lated according to their carrier location within the OFDM symbol. The PRBS generator depicted hereafter
shall be used to produce a sequence, w, . The polynomial for the PRBS generator shall be X't + X%+ 1.

msb Ish

Initidlization DL:1 1 1 1 1 1 1 1 1 1 1
Sequences yL:1 0 1 01 0 1 0 1 o0 1

112 |3 (45|67 (8|9 |10/11

Wy

Figure 202—PRBS for pilot modulation

The value of the pilot modulation, on carrier k, shall be derived from w, .

For OFDM mode, the value of the pilot is dependent also on the symbol index |, relative to the beginning of
the frame. The pilot k, in symbol | is given by wy, XOR w;, where w; is constructed in the same way as w,
and isinitialized on the first symbol of each frame.

When using data transmission on the DL, the initialization vector of the PRBSis: [11111111111] except for
the OFDMA DL PHY preamble (see clause 8.3.4.4.3.4). When using data transmission on the UL theinitial-
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ization vector of the PRBS will be: [10101010101]. The PRBS shall be initialized so that its first output bit
coincides with thefirst usable carrier (as defined in Table 232 for OFDM and in Table 241 and Table 242 for
OFDMA). A new value shall be generated by the PRBS on every usable carrier. For the PBRS allocation,
the DC carrier and the side-band carriers are not considered as usable carriers. Each pilot shall be transmit-
ted with a boosting of 2.5 dB over the average power of each data tone, with the exception of the OFDMA
UL preamble. The Pilot carriers shall be modulated according to the following formula:

rocy = §dw)

Im{C} =0

(20)

For OFDMA, aranging pilot modulation exception is defined in 8.3.4.4.5.1.4.
8.3.4.2.4.4 Transmitted Signal

Eq. 21specifies the transmitted signal voltage to the antenna, as a function of time, during any OFDM sym-
bal.

Nused/2
jomf t j2mkAf(t—T,)
e > yle ’
k = _Nused/2
k#0

s(t) = R (21)

where

t = time, elapsed since the beginning of the subject OFDM symbol, with 0 <t < TS.

&, = acomplex number; the datato be transmitted on the carrier whose frequency offset index isKk,
during the subject OFDM symbol. It specifies apoint in a QAM constellation.

Tg = guard time
Tg = OFDM symbol duration, including guard time

Af = carrier frequency spacing

8.3.4.2.5 Control Mechanisms

8.3.4.2.5.1 Synchronization

8.3.4.2.5.1.1 Network Synchronization

For TDD redizations, all Base-Stations may have the facility to be time synchronized to a common timing
signal. For FDD realizations, it is recommended (but not required) that all BSs be time synchronized to a

common timing signal. In the event of the loss of the network timing signal, BSs shall continue to operate
and shall automatically resynchronize to the network timing signal when it is recovered.
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For both FDD and TDD redlizations, frequency references derived from the timing reference may be used to
control the frequency accuracy of Base-Stations provided that they meet the frequency accuracy require-
ments of clause 8.3.4.2.5.1.3. This applies during normal operation and during loss of timing reference.

8.3.4.2.5.1.2 Frame timing reference

Base stations may be synchronized to a common timing reference. The synchronizing references shall be a
1pps timing pulse and a 10MHz frequency reference. These signals are typically provided by a GPS
receiver.

8.3.4.2.5.1.3 Subscriber Station Synchronization

For any duplexing all SSs shall acquire and adjust their timing such that all uplink OFDM symbols arrive
time coincident at the Base-Station to a accuracy of +/- 50% of the minimum guard-interval or better.

The frequency accuracy of the BS RF and Baseband reference clocks shall be at least 4 ppm. The user refer-
ence clock could be at a 20ppm accuracy, and the user should synchronize to the DL and extract his clock
from it, after synchronization the RF frequency would be accurate to 4% of the carrier spacing.

8.3.4.2.5.2 Ranging

Ranging for time (coarse synchronization) and power is performed during two phases of operation; during
registration of a new subscriber unit either on first registration or on re-registration after a period TBD of
inactivity; and second during FDD or TDD transmission on a periodic basis.

During registration, a new subscriber registers during the random access channel and if successful is entered
into aranging process under control of the base station. The ranging processis cyclic in nature where default
time and power parameters are used to initiate the process followed by cycles where (re)calculated parame-
ters are used in succession until parameters meet acceptance criteria for the new subscriber. These parame-
ters are monitored, measured and stored at the base station and transmitted to the subscriber unit for use
during normal exchange of data. During normal exchange of data, the stored parameters are updated in a
periodic manner based on configurable update intervals to ensure changes in the channel can be accommo-
dated. The update intervaswill vary in a controlled manner on a subscriber unit by subscriber unit basis.

Ranging on re-registration follows the same process as new registration.
8.3.4.2.5.3 Power control

Aswith frequency control, a power control agorithm shall be supported for the uplink channel with both an
initial calibration and periodic adjustment procedure without loss of data. The base station should be capable
of providing accurate power measurements of the received burst signal. This value can then be compared
against a reference level, and the resulting error can be fed back to the subscriber station in a calibration
message coming from the MAC sublayer. The power control algorithm shall be designed to support power
attenuation due to distance loss or power fluctuations at rates of at most TBD dB/second with depths of at
least TBD dB. The exact agorithm implementation is vendor-specific. The total power control range con-
sists of both a fixed portion and a portion that is automatically controlled by feedback. The power control
algorithm shall take into account the interaction of the RF power amplifier with different burst profiles. For
example, when changing from one burst profile to another, margins should be maintained to prevent satura-
tion of the amplifier and to prevent violation of emissions masks.

8.3.4.2.6 PMP Frame structure
When implementing a TDD system, the frame structure is built from BS and SS transmissions. Each burst

transmission consists of two or more OFDM symbols. In each frame, the TX/RX transition gap (TTG) and
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RX/TX transition gap (RTG) need to be inserted between the downlink and uplink and at the end of each
frame respectively to allow the BSto turn around (time plan for asingle frameis shownin Figure 203). TTG
and RTG shall be at least 5us and an integer multiple of the physical sot (PS) duration. For license-exempt
implementations, TDD isthe only duplexing arrangement alowed.

In FDD systems thereis no need for TTG and RTG as the downlink and uplink transmit on independent fre-
guencies (for H-FDD terminals, scheduling rules should avoid TX and RX activity of the same terminal
within the TTG and RTG gap time).

preamble DL/UL MAPs payload preamble payload preamble payload
4—N—>TTG< > ﬁG
DDA (DD RAWiED (DD Y (I w
-—>ad—>
Tg Ty
N DL burst S UL burst - UL burst

Figure 203—Time Plan - One TDD time frame

For all duplexing types (TDD and FDD), the cell radiusis dependent on the time left open for initial system
access. This time should be at least equal to the maximum tolerable round trip delay plus the number of
OFDM symbols necessary to transmit the ranging burst.

The framing structure used for the DL includes the transmission of a FCH, which is transmitted in the most
robust burst profile of the system followed by transmission using burst profiles as defined in the FCH. The
MAC layer aso definesthe DL transmission frame length and the length of the different transmission parts.

In the OFDM mode, the transitions between burst profiles takes place only on OFDM symbol boundaries, in
mode OFDMA the transitions between modulations and coding take place on OFDM symbol boundariesin
time domain and on subchannels within an OFDM symbol in frequency domain.

8.3.4.2.7 Channel quality measurements
8.3.4.2.7.1 Introduction

RSSI, CINR, and uncoded BER signa quality measurements and associated statistics can aid in such pro-
cesses as BS selection/assignment and burst adaptive profile selection. As channel behavior is time-variant,
both mean and standard deviation statistics for RSS| and CINR are defined, while only a mean statistic for
uncoded BER is defined.

The process by which RSSI measurements are taken does not necessarily require receiver demodulation
lock; for thisreason, RSSI measurements offer reasonably reliable channel strength assessments even at low
signal levels. On the other hand, although CINR measurements require receiver lock, they provide informa-
tion on the actual operating condition of the receiver, including interference and noise levels, and signal
strength. CINR measurements also tend to have much more resolution than BER measurements in assessing
channel quality, especialy at high CINRs.

8.3.4.2.7.2 RSSI mean and standard deviation

When collection of RSSI measurements is mandated by the BS, a SS shall obtain an RSSI measurement
from the data associated with MAC MAP messages. From a succession of RSS|I measurements, the SS shall
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derive and update estimates of the mean and the standard deviation of the RSSI, and report them when solic-
ited via RNG-REQ messages.

Mean and standard deviation statistics shall be reported in units of dBm. To prepare such reports, statistics
shall be quantized in 1 dB increments, ranging from a maximum of -60 dBm (encoded 0x3F) to a minimum
of -123 dBm (encoded 0x00). Values outside this range shall be assigned the closest extreme value within
the scale.

The method used to estimate the RSS| of a single message is left to individual implementation, but the rela-
tive accuracy of asingle signal strength measurement, taken from a single message, shal be +/- 2 dB, with
an absolute accuracy of +/- 4 dB. This shal be the case over the entire range of input RSSIs. In addition, the
range over which these single-message measurements are measured should extend 3 dB on each side beyond
the —60 dBm to -123 dBm limits for the final averaged statistics that are reported.

The (linear) mean RSSI statistics (in mW), derived from a multiplicity of single messages, shall be updated
using

R[O] k=0

~ mwW
(1-a)prssi[k—1] +a R[K] k>0

Urss[K] = {

where k is the time index for the message (with the initial message being indexed by k = 0, the next mes-
sageby k = 1, etc.), R[K] isthe RSSI in mW measured during message k, and a isan averaging parameter
specified by the BS. The mean estimate in dBm shall then be derived from

N

u [k = 10log(prsg[K]) dBm.

RSSI dBm

To solve for the standard deviation in dB, the expectation-squared statistic shall be updated using

IR[O] | k=0

~2
Xrssi[Kl = > )
(1-0a)X3eg[k—1] +a|RIK]| k>0

and the result applied to

N

RSSI dB = Slog( ;(és&[k] _(lIRSSI[k])Z) dB.

8.3.4.2.7.3 CINR mean and standard deviation

When Carrier-to-Interference-and-Noise-Ratio (CINR) measurements are mandated by the BS, a SS shall
obtain a CINR measurement from the data associated with MAC MAP messages. From a succession of
these measurements, the SS shall derive and update estimates of the mean and the standard deviation of the

CINR, and report them when solicited via RNG-REQ messages

Mean and standard deviation statistics for CINR shall be reported in units of dB. To prepare such reports,
statistics shall be quantized in 1 dB increments, ranging from a minimum of -10 dB (encoded 0x00) to a
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maximum of 53 dB (encoded Ox3F). Values outside this range shall be assigned the closest extreme value
within the scale.

The method used to estimate the CINR of asingle message isleft to individual implementation, but the rela-
tive and absolute accuracy of a CINR measurement derived from a single message shall be +/-1 dB and +/-2
dB, respectively, for all input CINRs above 0 dB. In addition, the range over which these single-packet mea-
surements are measured should extend 3 dB on each side beyond the —10 dB to 53 dB limits for the final
reported, averaged statistics.

One possible method to estimate the CINR of a single message is to compute the ratio of signal power to
residual error for each data sample, and then average the results from each data sample, using

N-1

CINRI = 3 —k n]|*
2kl = sk, n|?

where r[k, n] received sample n within message k; s[k, n] the corresponding detected or pilot sample (with
channel state weighting) corresponding to received symbol n.

The-mean CINR statistic (in dB) shall be derived from amultiplicity of single messages using

! [k = 10log(HeinglK]),

H CINR dB
where
~ CINRJO k=0
HeinrlK :{ ~ Lo
(L—a)ucinrlk—=1] +a CINR[K] k>0

k isthe time index for the message (with the initial message being indexed by k = 0, the next message by
k = 1, etc.); CINR[K] is alinear measurement of CINR (derived by any mechanism which delivers the pre-
scribed accuracy) for message k; and o is an averaging parameter specified by the BS.

To solve for the standard deviation, the expectation-squared statistic shall be updated using

2

2
- CINRJ[O k=0
K = | [0]]

(1-a)Xgyrlk—1] +a|CINR[K] | k>0

and the result applied to

N

- ~ 2
CINRdB 5|Og(XéINR[k]_(p-CINR[k]) ) dB.

8.3.4.2.7.4 Uncoded mean BER

When uncoded BER measurements are mandated by the BS, a SS shall obtain an uncoded BER measure-
ment from the data associated with MAC MAP messages. From a succession of these measurements, the SS
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shall derive and update an estimate of the mean of the uncoded BER. The SS shall then be capable of report-
ing this mean BER estimate via RNG-REQ messages.

The mean statistic shall be reported in integer-quantized 10log;o(BER) units, spanning from —3 (BER=5e-1
in linear terms) to —66 (BER=2.5e-7 in linear terms). Va ues that exceed the extremes of —3 and —66 shall be
encoded using the codes for the extreme vaues. These results shall be encoded into 6-bit words such that
0x00 represents -66 and Ox3F represents -3.

The uncoded BER of a single message shall be derived XORing an uncoded bit stream with a reference bit
stream, and recording the number of dissimilar bit locations aswell of the length of the bit stream. The BER
isthen calculated from the ratio of the number of bit errorsto the total number of bitsin the message to form
the BER measurement, BER[K] , for message k.

The bit decisions for the uncoded bit stream are derived by directly slicing the incoming symbol stream,
without passing the data to the FEC for decoding. The bit decisions for the reference stream are derived by
obtaining bit decisions from the FEC output (or the output of sub-element within the FEC, such as the inner
code decoder) and re-encoding these bit decisions.

The mean BER statistic shall then be updated using

BER[0] k=0

l,:lBER[k] = { ~
(1— o) pserk— 1] +a BER[K] k>0

where k isthe time for message k (with the initial message being indexed by k = 0, the next message by
k = 1, etc.); and a isan averaging parameter supplied by the BS as a system parameter.

The logarithmic form used for BER reports shall be computed using

u [k = 10log(pger(k]) dB.

BER dB
8.3.4.2.8 Transmitter Requirements

8.3.4.2.8.1 Transmit Power Level Control

The transmitter shall support monotonic power level control of 45dB minimum with resolution of 3dB.
8.3.4.2.8.2 Transmitter Spectral Flatness

The average energy of the constellationsin each of the n spectral lines shall deviate no more than the follow-

ing:

Table 221—Spectral Flatness

Spectral Lines Spectral Flatness

Spectral linesfrom -Ngg/4 t0 -1 and +1 to N gq/4 | +/-2dB from their average energy
measured over all N gq active tones

Spectral lines from -Ngg/2 t0 -Nge¢/4 and +2/-4dB from their average energy
+Nysed/4 t0 Nged/2 measured over all N gq active tones
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Thisdatawill be taken from the channel estimation step.

8.3.4.2.8.3 Transmitter Constellation Error and Test Method

C802.16a-02/55

Therelative constellation RM S error, averaged over carriers, OFDM frames, and packets, shall not exceed a
burst profile dependent value according to Table 222.

Table 222—Allowed relative constellation error versusdatarate

Burst type | Relative constellation error (dB)
QPSK-1/2 -10
QPSK-3/4 -13
16QAM-1/2 -16
16QAM-3/4 -19
64QAM-1/2 -22
64QAM-2/3 -25

The transmit modulation accuracy test shall be performed by instrumentation capable of converting the
transmitted signal into a stream of complex samples at 20 Msamples/s or more, with sufficient accuracy in
terms of 1/Q arm amplitude and phase balance, dc offsets, phase noise, etc. For all PHY modes, measure-
ments will be taken with all non-guard carriers active.

The sampled signal shall be processed in a manner similar to an actual receiver, according to the following

steps, or an equivalent procedure [B34]:

a) Start of frame shall be detected.

b) Transition from short sequences to channel estimation sequences shall be detected, and fine timing
(with one sample resolution) shall be established.

c) Coarse and fine frequency offsets shall be estimated.

d) The packet shall be de-rotated according to estimated frequency offset.

€) The complex channel response coefficients shall be estimated for each of the carriers.

f) For each of the data OFDM symbols: transform the symbol into carrier received values, estimate
the phase from the pilot carriers, de-rotate the carrier values according to estimated phase, and

divide each carrier value with a complex estimated channel response coefficient.

) For each data-carrying carrier, find the closest constellation point and compute the Euclidean distance

from it.

h) Compute the RM S average of all errorsin apacket. It is given by:
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Le Neer
N DD QLK) 10015,k + (QUI.j k) = Qi k)P
j=1lk=1
Z Pollp MNepr
Errorgys = — (22)

N¢

where
Ly isthe length of the packet;
N ;is the number of frames for the measurement;
(15 (i,j,k), Qo (i,j,k)) denotes the ideal symbol point of theit" frame, j" OFDM symbol of the
frame, k" carrier of the OFDM symbol in the complex plane;
(1Gi,j k), Q(i,j,k)) denotesthe observed point of the it frame, j'" OFDM symbol of the frame,
k™ carrier of the OFDM symbol in the complex plane;
P, is the average power of the constellation.

8.3.4.2.9 Receiver requirements
8.3.4.2.9.1 Receiver Sensitivity

The bit error rate (BER) shall be less than 10°° at the power levels shown Table 223 for standard message
and test conditions. If the implemented bandwidth is not listed, then the values for the nearest smaller listed
bandwidth shall apply. The minimum input levels are measured at the antenna connector. The measurement
shall be taken at the antenna port or through a calibrated radiated test environment using standardized packet
formats.

Table 223—Receiver minimum input level sensitivity (dBm)

Bandwidth QPSK 16QAM 64QAM
(MH2) 12 34 12 34 12 34
15 87 |8 | -8 78 74 72
175 | -8 | -84 | -79 77 73 71
3 -84 -82 =77 -75 -71 -69
35 83 | -8 |-76 74 70 68
5 & | -8 |-15 73 68 67
6 81 |79 | 74 72 68 66
7 8 |78 | 713 71 67 65
10 79 | 7 70 65 64
12 78 |76 | 7 -69 65 63
14 =77 -75 -70 -68 -64 -62
20 76 | 74 | -89 67 62 61
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Test messages for measuring Receiver Sensitivity shall be based on a continuous stream of MAC PDUs,
each with a payload consisting of a R times repeated sequence Sy oquiation- FOr €ach modulation, a different
sequence applies:

Sopsk = [0xE4, 0xB1, OXE1, 0xB4]

SlGQAM = [OXA8, OXZO, OXBg, OX31, OXEC, 0X64, OXFD, OX75]

Sea0am = [0XB6, 0x93, 0x49, 0xB2, 0x83, 0x08, 0x96, 0x11, 0x41, 0x92, 0x01, 0x00, OXBA, OXA3,
Ox8A, Ox9A, 0x21, 0x82, 0xD7, 0x15, 0x51, 0xD3, 0x05, 0x10, OxDB, 0x25, 0x92,
OxF7, 0x97, 0x59, OxF3, 0x87, 0x18, OXBE, 0xB3, OXCB, 0x9E, 0x31, 0xC3, OxDF,
0x35, 0xD3, 0xFB, 0xA7, Ox9A, OxFF, 0xB7, 0XDB]

For each mandatory test message, the (R,Syoquiation) tuples that shall apply are:

Short length test message payload (288 data bytes): (72,Sgpsk), (36,S160aM): (6:Ssa0aM)
Mid length test message payload (864 data bytes): (216,Sgpsk), (108,S160aM): (18,Ssa0am)

Long length test message payload (1536 data bytes): (384,Sgpsk), (192,S160aM): (32,Sea0am

The test condition requirements are: ambient room temperature, shielded room, conducted measurement at
the RF port if available, radiated measurement in a calibrated test environment if the antenna is integrated,
and RS FEC is enabled. The test shall be repeated for each test message length and for each (R,Sioduiation)
tuple as identified above, using the mandatory FEC scheme. The results shall meet or exceed the sensitivity
requirements set out in Table 223.

8.3.4.2.9.2 Receiver Adjacent and Alternate channel C/I|

The adjacent channel rejection and alternate channel rejection shall be measured by setting the desired sig-
nal's strength 3dB above the rate dependent receiver sensitivity (see Table 223) and raising the power level
of the interfering signal until the specified error rate is obtained. The power difference between the interfer-
ing signal and the desired channel is the corresponding adjacent channel rejection. The interfering signal in
the adjacent channel shall be a conforming OFDM signal, unsynchronized with the signal in the channel
under test. For non-adjacent channel testing the test method is identical except the interfering channel will
be any channel other than the adjacent channel or the co-channel.

For the PHY to be compliant, the minimum C/I shall exceed the following:

Table 224—Adjacent and Non-Adjacent Channel C/I

M odulation/Coding Adj ag:(i?t(gé];‘ nndl ng:r_,gd(j;?f %E)
QPSK-1/2 TBD TBD
QPSK-3/4 TBD TBD

16QAM-1/2 TBD TBD
16QAM-3/4 TBD TBD
64QAM-1/2 TBD TBD
64QAM-2/3 TBD TBD
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8.3.4.2.9.3 Receiver Maximum Input Signal

The receiver shall be capable of receiving a maximum on-channel signa of -30dBm, and must tolerate a
maximum signal of 0dBm without damage.

8.3.4.2.9.4 Receiver Linearity

The receiver shall have aminimum Input Intercept Point (11P3) of -10dBm.

8.3.4.2.10 Frequency Control Requirements

8.3.4.2.10.1 Transmit/Receive Center Frequency and Symbol Clock Frequency Tolerance

At the BS, the transmitted center frequency, receive center frequency and the symbol clock frequency shall
be derived from the same reference oscillator. At the BS the reference frequency tolerance shall be +/- 4 ppm
in licensed bands and +/- 7.5 ppm in license-exempt bands.

At the SS, both the transmitted center frequency and the symbal clock frequency shall be synchronized to
the BS with a tolerance of maximum 2% of the carrier spacing.

For mesh capable devices, all devices shall have a +/- 20ppm maximum freguency tolerance and achieve
synchronization to its neighboring nodes with atolerance of maximum 3% of the carrier spacing.

During the synchronization period, the SS shall acquire frequency synchronization within the specified tol-
erance before attempting any uplink transmission. During normal operation, the SS shall track the frequency
changes and shall defer any transmission if synchronization is lost.

8.3.4.2.10.2 Phase Noise

TBD
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8.3.4.2.11 General Requirements

8.3.4.2.11.1 Temperature Range

Table 225—Operational Temperature Classes

Class | Range(°C) | Environment
1 [0,40] TBD
2 [-20,50] TBD
3 [-30,70] TBD
4 [-40,85] TBD

8.3.4.2.11.2 Antenna Interface

Any exposed transmit and receive antenna interface port shall be 50 ohms. It is permissible to integrate the
antenna and eliminate any external RF port.

8.3.4.2.12 Transmit diversity: Alamouti's Space-Time Coding

Alamouti's scheme [B30] is used on the downlink to provide 2" order (Space) transmit diversity.

There are two transmit antennas on the BS side and one reception antenna on the SS side. This scheme
requires Multiple Input Single Output -MI1SO- channel estimation. Decoding is very similar to maximum

ratio combining.

Figure 204 shows Alamouti scheme insertion into the OFDM chain. Each Tx antenna has its own OFDM
chain, but they have the same Local Oscillator for synchronization purposes.

5| Subchannel | IFFT Input IFFT || Filter DAC RF J «
Modulation [ ~ [Packing %Tx % o B B
~ | Diversity| T
Encoder y/l/
:E IFFT || Filter| | DAC|_5| RF
5

\X* s

e

ADC

Y
Y

Demod. Ratios

, Diversity =3 Sub- Log-
Filterl sl |FFT 35| Combiner F-a=] chénnel || likeliood || decoder
==

Remate
Figure 204—lllustration of the Alamouti STC

Both antennas transmit in the same time 2 different OFDM data symbols. Transmission is performed twice
so as to decode and get 2nd order diversity. Time domain (Space-Time) repetition is used.
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8.3.4.2.12.1 MISO channel estimation and synchronization

Both antennas transmit in the same time, and they share the same Loca Oscillator. Thus, the received signal
has exactly the same auto-correlation properties as for a single antenna. So, time and frequency coarse and
fine estimation can be performed in the same way as for a single antenna. The scheme requires MI1SO chan-
nel estimation, which is alowed by splitting some preambles and pilots between the 2 Tx antennas, as
described in clause 8.3.4.2.12.2

8.3.4.2.12.2 Alamouti STC Encoding

The basic scheme [B30] transmits 2 complex symbols s and sy, using the MISO channel (two Tx, one Rx)
twice with channel values h, (for antenna0) and h, (for antenna 1).

First channel use:  Antenna0 transmits s, , antennal transmits s, .
Second channel use: Antenna0 transmits —s, U, antennal transmits s,™.

Receiver gets r, (first channel use) and r, (second channel use) and computes s, and s, estimates:
So = hyOry+hy 0,0 (23)
§; = h, 00 g—h, 0,0 (24)

These estimates benefit from 2nd order diversity as in the 1ITx-2Rx Maximum Ratio Combining scheme.
OFDM symbols are taken by pairs. (equivaently, 2 Tx symbol duration istwice 1 Tx symbol duration, with
twice more data in a symbol.) In the transmission frame, variable location pilots are kept identical for two
symbols and L is constant for the duration of two symbols (see clause 8.3.4.4.3.1 for definition of L). Alam-
outi's scheme is applied independently on each carrier, in respect to pilot tones positions.

Figure 205 shows Alamouti's scheme for OFDMA. Note that for OFDM, the scheme is exactly the same
except that a pilot symbol is inserted before the data symbols. Also note that since pilot positions do not
change from even to odd symbols, and pilots modulation is real, conjugation (and inversion) can be applied
to awhole symbol (possibly in the time domain).
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Figure 205—Alamouti Scheme Usage with OFDM/OFDMA
8.3.4.2.12.3 Alamouti STC Decoding

The receiver waits for 2 symbols, and combines them on a carrier basis according to Eq. 23 and Eq. 24 in
clause 8.3.4.2.12.2.

8.3.4.2.13 Frame duration codes

Table 210 indicates the various frame durations that are allowed. The actual frame time used by the down-
link channel can be determined by the periodicity of the frame start preambles.

Table 226—Frame dur ation codes

Nominal frame duration (Tg ms)
Code(N)
PMP M esh
0-6 N/2+2 N+4
7-11 N-1 N+4
12-255 Reserved Reserved

For the OFDM and OFDMA PHY, the frameisan integer multiple of OFDM symbol durations, such that the
actual frame duration is nearest to the nominal frame duration listed in Table 210. Both RTG and TTG shall
be no lessthan 5 psin duration. When using Alamouti STC Encoding, the frame shall contain (in addition
to all other requirements) an even number of OFDM symbolsin the DL. This requirement shall be taken into
account when deriving the actual frame duration from Table 210.

For the OFDMA PHY in an FDD case, the frame duration will be an integer multiple of three OFDM sym-

bols duration, such that the actual frame duration is nearest to the nomina frame duration listed in Table
210. For OFDMA mode in aTDD case, the frame duration will be an integer multiple of one OFDM symbol
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duration, plus aRTG and TTG guard interval, such that the actual frame duration is nearest to the nominal
frame duration listed in Table 210.
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